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DYNAMIC READJUSTMENT OF POWER 

CROSS REFERENCES TO RELATED 
APPLICATIONS 

This application is related to the following co-pending U.S. 
patent applications filed on Mar. 31, 2005, all of which are 
hereby incorporated herein by reference: 

U.S. patent application Ser. No. 11/095,788 entitled 
“DYNAMIC FREQUENCY HOPPING”) and which is 
referred to here as the 672 Application; 

U.S. patent application Ser. No. 11/095,628 entitled 
“DYNAMIC DIGITALUP AND DOWN CONVERTERS) 
and which is referred to here as the 673 Application; 

U.S. patent application Ser. No. 11/095,789 entitled 
DYNAMIC RECONFIGURATION OF RESOURCES 
THROUGH PAGE HEADERS) and which is referred to 
here as the 675 Application; 

U.S. patent application Ser. No. 1 1/094,848 entitled “SIG 
NAL ENHANCEMENT THROUGH DIVERSITY) and 
which i referred to here as the 676 Application; 

U.S. patent application Ser. No. 1 1/095,111 entitled 
SNMP MANAGEMENT IN A SOFTWARE DEFINED 
RADIO”) and which is referred to here as the 677 Applica 
tion; 

U.S. patent application Ser. No. 1 1/095.112 entitled 
“TIME STAMP IN THE REVERSE PATH) and which is 
referred to here as the 678 Application; 

U.S. patent application Ser. No. 11/094,949 entitled 
“BUFFERS HANDLING MULTIPLE PROTOCOLS) and 
which is referred to here as the 679 Application; 

U.S. patent application Ser. No. 11/095,113 entitled 
“TIME START IN THE FORWARD PATH) and which is 
referred to here as the 680 Application; 

U.S. patent application Ser. No. 11/094,950 entitled 
“LOSS OF PAGE SYNCHRONIZATION”) and which is 
referred to here as the 681 Application; 

U.S. patent application Ser. No. 11/094,947 entitled 
DYNAMIC REALLOCATION OF BANDWIDTH AND 
MODULATION PROTOCOLS’’’ and which is referred to 
here as the 684 Application; 

U.S. patent application Ser. No. 11/095,150 entitled 
METHODS AND SYSTEMS FOR HANDLING UNDER 
FLOW AND OVERFLOW IN A SOFTWARE DEFINED 
RADIO”) and which is referred to here as the 686 Applica 
tion; and 

U.S. patent application Ser. No. 11/095,779 entitled 
INTEGRATED NETWORK MANAGEMENT OF A 
SOFTWARE DEFINED RADIOSYSTEM) and which is 
referred to here as the 700 Application. 

TECHNICAL FIELD 

The following description relates to communication sys 
tems and in particular to wireless communication systems. 

BACKGROUND 

Many changes are taking place in the way wireless com 
munication networks are being deployed. Some of the 
changes are being driven by the adoption of new mobile 
communications standards. The introduction of Software 
defined radios to wireless telecommunications has led to the 
generation of software and hardware solutions to meet the 
new standards. 
A software defined radio (SDR) uses software for the 

modulation and demodulation of radio signals. The use of 
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2 
reprogrammable software allows key radio parameters, such 
as frequency and modulation protocols to be modified with 
out the need to alter the underlying hardware of the system. 
Additionally, SDRs allow a single device to support multiple 
configurations which previously would have required mul 
tiple hardware devices. One example of a software defined 
radio is the Vanu Software Radio produced by Vanu, Inc. (See 
U.S. Pat. No. 6,654,428). 

Current mobile communication standards introduce physi 
cal and logical channels and pose new issues in the transport 
of information within the communication networks. Some 
modulation protocols that wireless communication networks 
operate with includes, but is not limited to, Advanced Mobile 
Phone System (AMPS), code division multiple access 
(CDMA), Wide-band CDMA (WCDMA), time division mul 
tiple access (TDMA), Global System for Mobile communi 
cations (GSM), Cellular Digital Packet Data (CDPD), 
Enhanced Data rates for GSM Evolution (EDGE), General 
Packet Radio Service (GPRS), Integrated Digital Enhanced 
Network (iDEN), and Orthogonal Frequency Division Mul 
tiplexing (OFDM). 

Purchasing hardware designed to operate with only a 
single standard results in idle resources at times when net 
work demand for that modulation standard is low. To avoid 
the expenses associated with operating and maintaining hard 
ware dedicated to each standard, there is a need in the art 
today for communications network hardware that is modula 
tion standard independent and can be dynamically reconfig 
ured to Support modulation standards based on the current 
demands on the network and operate with multiple standards 
simultaneously. 

Another need generated by the adoption of new mobile 
communications standards is ability for communications net 
work hardware to dynamically adjust the power levels of 
radio frequency transmissions in order to maintainacceptable 
signal quality as required by standards. Signal power level 
adjustments are required both in order to minimize co-chan 
nel interference and to conserve power. 

For the reasons stated above, and for other reasons stated 
below that will become apparent to those skilled in the art 
upon reading and understanding the present specification, 
there is a need in the telecommunications industry for sys 
tems and methods for dynamically reconfigurable communi 
cation networks which can dynamically adjust communica 
tions signal gains. 

SUMMARY 

Embodiments of the present invention address the problem 
of adjusting the signal gains of communications signals trans 
mitted through communications networks, as well as other 
problems and will be understood by reading and studying the 
following specification. 

In one embodiment, a communications system is pre 
sented. The communications system comprises a server, 
including one or more radio head interface modules, a call 
processing software module, and a radio head unit coupled to 
the radio head interface module over one or more transport 
mediums. The one or more radio head interface modules 
adapted to communicate with the call processing Software 
module, wherein the call processing Software performs 
modulation and demodulation of Voice and data streams 
using one or more air interface protocols. The radio head unit 
communicates with one or more Subscriber units using the 
one or more air interface protocols. The radio head interface 
module receives power level adjustment parameters from the 
call processing Software module for one or more logical chan 
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nels and reconfigures the signal gain of one or more commu 
nications channels based on the power level adjustment 
parameters. 

In yet another embodiment, a method for dynamic signal 
gain adjustment for a communications network logical chan 
nel is disclosed. The method comprises receiving signal gain 
adjustment parameters indicating a desired signal gain and a 
designated trigger event, determining digital frequency con 
Verter filter parameters for the desired signal gain, and recon 
figuring a digital frequency converter with the filter param 
eters upon occurrence of the designated trigger event. 

In yet another embodiment, a computer-readable medium 
having computer-executable instructions for a method for 
dynamic signal gain adjustment for a communications net 
work logical channel is provided. The method comprises 
receiving signal gain adjustment parameters indicating a 
desired signal gain and a designated trigger event, determin 
ing digital frequency converter filter parameters for the 
desired signal gain, and reconfiguring a digital frequency 
converter with the filter parameters upon occurrence of the 
designated trigger event. 

In still another embodiment, another communication sys 
tem is provided. The communication system comprises a 
Software module, a radio head interface module, a radio head 
unit, a means for embedding channel signal gain parameters 
into a page header of a page of a first set of complex RF data 
samples, a means for communicating the page of the first set 
of complex RF data samples and page header from the Soft 
ware module to the radio head interface module, a means for 
extracting the channel signal gain parameters from the page 
header, a means of communicating a second set of complex 
RF data samples from the radio head interface module to the 
radio head unit, and a means for adjusting the signal gain of 
the second set of complex RF data samples based on the 
channel signal gain parameters. 

DRAWINGS 

The present invention is more easily understood and fur 
ther advantages and uses thereof more readily apparent, when 
considered in view of the description of the preferred embodi 
ments and the following figures in which: 

FIGS. 1A, 1B and 1C are block diagrams of one embodi 
ment of a communications system of the present invention. 

FIG. 2 is a flow chart of a method for practicing one 
embodiment of the present invention. 

In accordance with common practice, the various 
described features are not drawn to scale but are drawn to 
emphasize features relevant to the present invention. Refer 
ence characters denote like elements throughout Figures and 
text. 

DETAILED DESCRIPTION 

In the following detailed description, reference is made to 
the accompanying drawings that form a part hereof, and in 
which is shown by way of illustration specific illustrative 
embodiments in which the invention may be practiced. These 
embodiments are described in sufficient detail to enable those 
skilled in the art to practice the invention, and it is to be 
understood that other embodiments may be utilized and that 
logical, mechanical and electrical changes may be made with 
out departing from the spirit and scope of the present inven 
tion. The following detailed description is, therefore, not to be 
taken in a limiting sense. 

Embodiments of the present invention concern portions of 
a cellular telecommunications network that typically com 
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4 
prises one or more cellular antennas, a remote unit (also 
called a radio head) transmitting and receiving Voice and/or 
data communications, and a base station (also commonly 
called a base transceiver station (BTS), or a server) that com 
municates data between the remote unit and a larger commu 
nication network (e.g. the public Switched telephone network, 
or the Internet). One or more base stations are connected to a 
base station controller (BSC) which controls data communi 
cation flows in one or more connected base stations. 

In some embodiments, communications between a BTS 
and a remote unit take place through two sets of data streams. 
Typically, forward logical channels carry data streams from 
the BTS through the remote unit to the end user device. 
Reverse logical channels carry data streams from the end user 
devices through the remote unit to the BTS. Each of the 
logical channels is assigned a radio frequency (RF) channel 
and a modulation protocol, which the remote unit uses to 
wirelessly communicate data with individual cellular 
devices. 

FIG. 1A is a block diagram of one embodiment of a com 
munication system shown generally at 100. Communication 
system 100 includes one or more subscriber units 102 (or 
mobile devices 102) within a service area of a radio head unit 
104. Radio head unit 104 is coupled to one or more servers 
110 (or BTS 110) over one or more transport mediums 111, 
and 112. In one embodiment, transport mediums 111 and 112 
comprise one or more high speed transport mediums. 

In one embodiment, transport mediums 111 and 112 com 
prise one or more high speed digital data transport mediums. 
In one embodiment, transport mediums 111 and 112 com 
prises one or more optical fiber data paths. It would be well 
understood by one in the art upon reading this specification 
that transmit mediums 111 and 112 are not limited to optical 
fiber media but that embodiments include any optical or elec 
trical transport media. 
BTS 110 is connected to one or more communication net 

works 120 (e.g. public switched telephone network (PSTN), 
Internet, a cable network, or the like). In one embodiment, 
BTS 110 is connected to one or more communications net 
works through a base station controller (BSC) 118. In one 
embodiment, BTS 110 includes a call processing software 
module 114 (or call processing software 114) that interfaces 
between a radio head interface module 106 and one or more 
communication networks 120. In one embodiment, call pro 
cessing software module 114 is comprised of one or more 
Software applications. In one embodiment, call processing 
Software module 114 also includes programming which 
implements an SDR with the BTS 110 and radiohead unit 104 
hardware, digitally performing waveform processing to 
modulate and demodulate radio signals transmitted and 
received, respectively, from cellular antennas 160. In one 
embodiment, call processing Software module 114 is a Vanu, 
Inc., Vanu Software Radio. 

In one embodiment, network 100 is abidirectional network 
and as shown includes equipment for forward links (i.e. trans 
missions on forward logical channels from communications 
network 120 to mobile device 102) and reverse links (i.e. 
transmissions on reverse logical channels from mobile device 
102 to communications network 120). 

In some embodiments, additional reverse links are also 
provided that duplicate the reverse logical channels. In some 
embodiments, this set of duplicate reverse logical channels 
are called diversity channels. It should be understood that 
descriptions in this specification relating to embodiments of 
reverse logical channels also apply to Such diversity channels. 
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Further details pertaining to the advantages and operation of 
diversity channels are provided in the 676 Application incor 
porated herein by reference. 

Radiohead unit 104 consists fundamentally of an antenna, 
a duplexer, a multicarrier power amplifier and low-noise 
amplifier. Radio head unit 104 communicates with one or 
more Subscriber units 102 in a particular coverage area over 
forward and reverse links provided through radio head unit 
104's associated antenna 160. In the forward link, call pro 
cessing Software module 114 generates representations of 
Voice/data signals into data streams that are transported to 
radio head unit 104 via transport mediums 111. The forward 
link includes a forward radio frequency (RF) channel over 
which radio head unit 104 transmits the representations of 
voice/data signals to subscriber unit 102. Subscriber unit 102 
transmits back to remote unit 104 over a reverse RF channel. 
Radiohead unit 104 is responsible for receiving the RF signal 
from subscriber units 102, digitizing the RF signal and con 
Verting the digitized RF signal to a digital representation 
signal for transmission as a reverse link data stream over one 
or more transport mediums 112 to BTS 110. Subscriber unit 
102 as used in this application includes, but is not limited to, 
cellular telephones, pagers, personal digital assistants, wire 
less modems, and other wireless terminals. Subscriber unit 
102 may be a hand held device, a mobile station or a fixed 
station Such as in a wireless local loop system. The radio head 
unit 104 communicates received signals to server 110 for 
routing to one or more communication networks 120. 

In one embodiment, BTS 110 communicates with radio 
head unit 104 through radio head interface module 106 (or 
radio head interface 106). Radio head interface 106 estab 
lishes high speed digital communication paths for two or 
more sets of base band data stream logical channels and all 
communication between BTS 110 and radio head unit 104 
goes through radio head interface 106. Radio head interface 
106 and radio head unit 104 both handle multiple types of 
modulation protocols, and in different embodiments, one or 
more of the logical channels transmit data using a different 
modulation protocol than another logical channel. In one 
embodiment, radio head unit 104, radio head interface mod 
ule 106, and call processing software module 114 handle 
modulation protocols for one or more of, but not limited to, 
Advanced Mobile Phone System (AMPS), code division 
multiple access (CDMA), Wide-band CDMA (WCDMA), 
time division multiple access (TDMA), Global System for 
Mobile communications (GSM), Cellular Digital Packet 
Data (CDPD), Enhanced Data rates for GSM Evolution 
(EDGE), General Packet Radio Service (GPRS), Integrated 
Digital Enhanced Network (iDEN), Orthogonal Frequency 
Division Multiplexing (OFDM), or any other appropriate 
modulation protocol. A modulation protocol is commonly 
also referred to as an air interface standard, a modulation 
standard, an air interface protocol, or an air interface modu 
lation protocol. For each logical channel, call processing 
software module 114 performs modulation and demodulation 
of forward and reverse logical channel Voice and data streams 
using one or more of the air interface standard protocols. 

In one embodiment, radio head interface module 106 is 
coupled to BTS 110 through an interface device 116. In one 
embodiment, interface device 116 is one of, but not limited to 
a PCI-X interface, an ATCA interface, a PCI Express inter 
face, a Gigabit Ethernet interface, a SCSI interface, a Rocket 
I/O interface, a UDP/IP link interface, a TCP/IP link inter 
face, a Serial ATA interface, a Card bus for PCMIA card 
interface, a high speed serial interface or a high speed parallel 
interface. 
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6 
During initial configuration of communication system 100, 

digital up-converter (DUC) and digital down-converter 
(DDC) filter parameters and sampling rates are loaded into 
radio head interface 106 for one or more of the protocols 
supported by radio head unit 104. Such parameters include, 
but are not limited to, filter parameters and sampling rates 
necessary to Support valid RF channel, signal bandwidth, 
signal gain, and protocol configurations. Additional details 
regarding the configuration and operation of DUCs and 
DDCs are discussed in the 673 Application, incorporated 
herein by reference. In one embodiment, the parameters are 
stored in a table in memory in radio head interface 106. 
Embodiments of the present invention enable radio head 

interface 106 to adjust the signal gain (i.e. the signal power 
level) of RF signals transmitted by radiohead unit 104 and the 
signal gain of digitized RF signals received from radio head 
unit 104 by radio head interface 106. 

FIG. 1B illustrates one embodiment of a forward logical 
channel 130-1 data path. A radio head interface forward logi 
cal channel comprises a transmit buffer 128-1, a transmit 
engine 126-1, a DUC 122-1 and a time synchronizer 124-1. In 
operation, in one embodiment, transmit buffer 128-1 receives 
a page of complex data samples from call processing Software 
114. Transmit engine 126-1 removes the page of complex 
data samples from the transmit buffer 128-1 and sends the 
data samples to DUC 122-1. In one embodiment, transmit 
engine 126-1 holds the page of complex data samples until 
time synchronizer 124-1 determines that the current time 
matches a start time code embedded within the page. When 
the two times match, transmit engine 126-1 starts transmitting 
the page of complex data samples to DUC 122-1. 

In one embodiment, call processing software 114 modu 
lates representations of voice/data signals for forward logical 
channel 130-1 to an intermediate (or baseband) frequency to 
produce a page of a first set of complex RF data samples. 
DUC 122-1 converts the page of the first set of complex RF 
data samples from the baseband frequency used by call pro 
cessing Software 114 into a digital stream of representations 
of Voice/data signals modulated at a center frequency desig 
nated for the RF channel assigned to logical channel 130-1, 
and outputs the digital stream as a second set of complex RF 
data samples. In one embodiment, the first set of complex RF 
data samples are 16 bit data samples. In one embodiment, the 
second set of complex RF data samples are 14 bit data 
samples. Embodiments of the present invention provide for 
dynamic readjustment of the signal power level (i.e. the signal 
gain) of the signal broadcasted by radio head unit 104 by 
reconfiguring DUC 122-1 with filter parameters that either 
increase of decrease the signal amplitudes of the complex RF 
data samples processed by DUC 122-1. Increased signal 
amplitude results in higher power output from 104's RF trans 
mitter while decreased signal amplitudes result in lower 
power output. 

In one embodiment, radio head interface card 106 com 
prises a plurality of M forward logical channels 130-1 
through 130-M each having transmit buffers 128-1 through 
126-M, transmit engines 126-1 through 126-M, DUCs 122-1 
through 122-M and time synchronizers 124-1 through 124 
M, each operating as described herein. 

In one embodiment, radio head interface 106 is dynami 
cally reconfigured to adjust the signal power level of data 
signals transmitted through forward logical channel 130-1. In 
operation, in one embodiment, configuration management 
unit 132 receives information from call processing software 
module 114 to adjust the signal power level of logical channel 
130-1. Configuration management unit 132 looks up the asso 
ciated parameters for the desired signal gain from the table 
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located in memory 136. Through control channel 134, con 
figuration management unit 132 loads appropriate filter coef 
ficients to DUC 122-1. In one embodiment, DUC 122-1 is 
adapted with a buffer memory which holds the parameters 
received from configuration management unit 132. In one 
embodiment, transmit engine 126-1 sends a synchronization 
signal to DUC 122-1 to load the parameters from buffer 
memory into DUC 122-1’s active registers. Once the param 
eters are loaded into the active registers, logical channel 
130-1 amplifies forward link data samples based on the signal 
power level specified by call processing software module 
114. 

In one embodiment, radio head interface 106 is dynami 
cally reconfigured to adjust reverse logical channel 140-1 
signal gain for reverse link data samples. Increasing or 
decreasing the signal gain of a reverse logical channel may be 
desired in situations where changes in network hardware (e.g. 
replacement of a cellular antenna on radio head 104) alter the 
overall signal gain of a logical channel. In other embodiments 
utilizing diversity logical channels, dynamic adjustment of 
signal gains for associated reverse and diversity logical chan 
nels allows the two reverse link data stream signal power 
levels to be equalized independent of diverse network hard 
ware such as, but not limited to, antennas with different gains. 

In FIG. 1C, one embodiment of the present invention for a 
reverse logical channel 140-1 data path is illustrated. A radio 
head interface 106 reverse logical channel 140-1 comprises a 
receiver buffer 148-1, a receive engine 146-1, and a DDC 
142-1. In one embodiment, radio head interface card 106 
comprises a plurality of N reverse logical channels 140-1 
through 140-N each having receiver buffers 148-1 through 
148-N, receive engines 146-1 through 146-N and DDCs 
142-1 through 142-N. In operation, in one embodiment, sub 
scriber unit 102 modulates representations of voice/data sig 
nals into a digital stream of representations of Voice/data 
signals (a third set of complex RF data samples) modulated at 
a center frequency designated for the RF channel assigned to 
reverse logical channel 140-1. DDC 142-1 converts the digi 
tal stream into complex RF data samples modulated at an 
intermediate (or baseband) frequency used by call processing 
software 114. Receive engine 146-1 receives the complex RF 
data samples from DDC 142-1 and places them into a receiver 
buffer 148-1. As receiver buffer 148-1 fills, it creates a page of 
a fourth set of complex RF data samples. In one embodiment, 
the thirds set of complex RF data samples are 14 bit samples. 
In one embodiment, the fourth set of complex RF data 
samples are 16 bit samples. The completed page is Subse 
quently received and processed by call processing Software 
module 114. Embodiments of the present invention provide 
for dynamic readjustment of the signal power level (i.e. the 
signal gain) of the complex RF data signals received by call 
processing software 114 by reconfiguring DDC 142-1 with 
filter parameters that either increase of decrease the signal 
amplitudes of the complex RF data samples processed by 
DDC 142-1. In one embodiment, reverse logical channel 
140-1 is a diversity logical channel. 

In operation, in one embodiment, configuration manage 
ment unit 132 receives information from call processing soft 
ware module 114 to adjust the reverse link signal gain for 
logical channel 140-1. Configuration management unit 132 
looks up the associated parameters for the desired signal gain 
from the table located in memory unit 136. Through control 
channel 134 configuration management unit 132 loads the 
appropriate filter coefficients to DDC 142-1. In one embodi 
ment, DDC 142-1 is adapted with a buffer memory that holds 
the parameters received from configuration management unit 
132. In one embodiment, an associate forward logical chan 
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8 
nel 130-1's transmit engine 126-1 sends a synchronization 
signal to DDC 142-1 to load the parameters from the buffer 
memory into DDC 142-1's active registers. Once the param 
eters are loaded into the active registers, logical channel 
140-1 amplifies reverse link data samples based on the signal 
gain specified by call processing software module 114. 

In one embodiment, configuration management unit 132 is 
adapted to know the transmitter power ratings for each modu 
lation protocol supported by the radiohead unit 104 hardware 
based on the parameter table stored in memory unit 136. In 
one embodiment, the transmitter power ratings are loaded 
into memory unit 136 during the initial configuration of com 
munications system 100. In some embodiments, when call 
processing software module 114 instructs radio head inter 
face 106 to adjust the signal power level beyond the range of 
radio head unit 104's transmitter power ratings, radio head 
interface 106 generates an error condition flag to call process 
ing software module 114. In one embodiment, when call 
processing software module 114 instructs radio head inter 
face 106 to adjust the signal power level at an invalid desig 
nated time, radio head interface 106 generates an error con 
dition flag to call processing software module 114. In one 
embodiment, radio head interface 106 is adapted to disregard 
signal power level adjustment instructions from call process 
ing software module 114 that result in the generation of an 
error condition flag. 

FIG. 2 is a flow chart of one embodiment of dynamic signal 
power level adjustments, based on the apparatus of FIGS. 1A, 
1B and 1C of the present invention, shown generally at 200. A 
BTS determines the need to adjust the signal power level of a 
logical channel (210). The BTS communicates signal power 
adjustment parameters to a radio head interface (220). In one 
embodiment, signal power adjustment parameters include 
signal gain parameters and a timing trigger indicating when to 
perform the power level adjustment. In one embodiment, the 
timing trigger indicates a designated time based on a radio 
head interface internal clock. In one embodiment, the timing 
trigger is a specific data sample within a page of complex data 
samples. Next, the radio head interface determines whether 
the signal gain parameters are valid (230). In one embodi 
ment, the radio head interface determines whether the signal 
gain parameters are valid for the radiohead hardware coupled 
to the radiohead interface. In one embodiment, the radiohead 
interface further verifies that the timing trigger is valid, when 
the trigger is in the form of a designated time. When the signal 
gain parameters are valid, a configuration management unit 
determines the required DUC/DDC filter parameters (240) 
(DUC filter parameters for forward direction logical channels 
and DDC filter parameters for reverse direction logical chan 
nels). In one embodiment, the configuration management unit 
loads the filter parameters into DUC/DDC buffers (245). 
When the timing trigger arrives, the DUC/DDC is reconfig 
ured to output digital signals with the new signal gain (250). 
In one embodiment, the radio head then begins transmitting 
RF signals at the new signal power level. In one embodiment, 
when the signal gain parameters are not valid, the radio head 
interface ignores the signal power level adjustment param 
eters sent by the BTS and in one embodiment, radio head 
interface then sends an error message to the BTS (235). 

In one embodiment, signal power level adjustment param 
eters are communicated from call processing software mod 
ule 114 to configuration management unit 132 through a page 
header. In one embodiment, call processing Software module 
114 outputs to logical channel 130-1's transmit buffer 128-1 
a page of complex data samples representing Voice and data 
communications. Prefixed to the data samples, is a page 
header that in one embodiment includes one or more of, but 
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not limited to, a signal gain indicator (SGI), signal gain 
parameters, and a timing trigger. Further details concerning 
the communication of radio head interface module signal 
power adjustment parameters through page headers is 
described in the 675 Application herein incorporated by 
reference. 

In one embodiment, transmit engine 126-1 removes the 
page header from the page of complex RF data samples, 
sending only the complex RF data samples representing Voice 
and data communications to DUC 122-1. Transmit engine 
126-1 further evaluates the header for indicator flags. In one 
embodiment, when transmit engine 126-1 identifies an SGI 
flag, then one or more of signal gain parameters and a timing 
trigger are further read from the page header and communi 
cated to configuration management unit 132. As described 
previously, configuration management unit 132 then looks up 
associated filterparameters to reconfigure DUC 122-1. In one 
embodiment, the page header includes signal gain adjustment 
parameters for an associated reverse logical channel 140-1. In 
that case, transmit engine 126-1 communicates the signal 
gain parameters to configuration management unit 132 that 
then looks up associated filter parameters to reconfigure DDC 
142-1. 

Several ways are available to implement the radio head 
interface modules, Software modules (e.g. call processing 
software modules), and BTS elements of the current inven 
tion. These include, but are not limited to systems such as, 
digital computer systems, programmable controllers, or field 
programmable gate arrays. Therefore other embodiments of 
the present invention are the program instructions resident on 
computer readable media which when implemented by such 
systems, enable the systems to implement embodiments of 
the present invention. Computer readable media include any 
form of computer memory, including but not limited to punch 
cards, magnetic disk or tape or any other magnetic storage 
system, any optical data storage system, flash ROM, non 
volatile ROM, PROM, E-PROM or RAM, or any other form 
of permanent, semi-permanent, or temporary memory Stor 
age system or device. 

Although specific embodiments have been illustrated and 
described herein, it will be appreciated by those of ordinary 
skill in the art that any arrangement, which is calculated to 
achieve the same purpose, may be substituted for the specific 
embodiment shown. This application is intended to cover any 
adaptations or variations of the present invention. Therefore, 
it is manifestly intended that this invention be limited only by 
the claims and the equivalents thereof. 

What is claimed is: 
1. A communications system, comprising: 
a server, including: 

one or more radio head interface modules; and 
a call processing Software module, the one or more radio 
head interface modules adapted to communicate with 
the call processing software module; 

wherein the call processing Software performs modula 
tion and demodulation of Voice and data streams 
using one or more air interface protocols; and 

a radio head unit coupled to the radio head interface 
module over one or more transport mediums; 

wherein the radio head unit communicates with one or 
more Subscriber units using the one or more air inter 
face protocols; 

wherein the radio head interface module receives power 
level adjustment parameters from the call processing 
Software module for one or more logical channels; 
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10 
wherein the radio head interface module reconfigures 

the signal gain of one or more communications chan 
nels based on the power level adjustment parameters. 

2. The system of claim 1, wherein the server further com 
prises: 

one or more interface devices, wherein the one or more 
radio head interface modules communicate with the call 
processing software module over the one or more inter 
face devices. 

3. The system of claim 2, wherein one or more interface 
devices includes at least one of a PCI-X interface, a ATCA 
interface, a PCI Express interface, a Gigabit Ethernet inter 
face, a SCSI interface, a Rocket I/O interface, a UDP/IP link 
interface, a TCP/IP link interface, a Serial ATA interface, a 
Card bus for PCMIA cards interface, a high speed serial 
interface and a high speed parallel interface. 

4. The system of claim 1, wherein one or more air interface 
protocols include at least one of Global System for Mobile 
communications (GSM), Advanced Mobile Phone System 
(AMPS), code division multiple access (CDMA), Wide-band 
CDMA, time division multiple access (TDMA), Cellular 
Digital Packet Data (CDPD), Enhanced Data rates for GSM 
Evolution (EDGE), General Packet Radio Service (GPRS), 
Integrated Digital Enhanced Network (iDEN), and Orthogo 
nal Frequency Division Multiplexing (OFDM). 

5. The system of claim 1, wherein power level adjustment 
parameters include at least one of a signal gain indicator, 
signal gain parameters, and a timing trigger. 

6. The system of claim 5, wherein the timing trigger is a 
designated time. 

7. The system of claim 6, wherein the designated time 
correlates to a time count internal to the radio head interface 
module. 

8. The system of claim 7, wherein radio head interface 
module further comprises a global positioning system 
receiver, wherein the time count internal to the radio head 
interface module is synchronized with an output signal from 
the global positioning system receiver. 

9. The system of claim 8, wherein the call processing 
Software module is synchronized with an output signal from 
the global positioning system receiver. 

10. The system of claim 5, wherein the timing trigger is a 
designated data sample. 

11. The system of claim 1, wherein the call processing 
Software communicates one or more pages of data samples 
with the one or more radiohead interface modules, each of the 
one or more pages of data samples having a page header; 

wherein signal gain adjustment parameters are contained 
in the page header. 

12. The system of claim 1, wherein the transport mediums 
are one or more of twisted pair cable, optical fiber, millimeter 
wave, coaxial cable, and Free Space Optics (FSO). 

13. The system of claim 1, wherein the radiohead interface 
module further comprises: 

a transmit buffer, the transmit buffer adapted to receive a 
data stream from the call processing Software module 
and store the data stream as a page of data samples; 

a transmit engine; 
a digital upconverter, wherein the transmit engine is 

adapted to transfer the page of data samples from the 
transmit buffer to the digital upconverter; 

a configuration management unit adapted to receive power 
level adjustment parameters from the call processing 
Software module; and 

a memory adapted with digital upconverter filter param 
eters; 
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wherein the configuration management unit is further 
adapted to access the memory to lookup digital upcon 
verter filter parameters based on the power level adjust 
ment parameters; 

wherein the configuration management unit is further 
adapted to output the digital upconverter filter param 
eters to the digital upconverter. 

14. The system of claim 13, wherein the radio head inter 
face module further comprises: 

a receive buffer; 
a receive engine; and 
a digital downconverter; 
the receive engine adapted to transfer a data stream from 

the digital downconverter to the receive buffer, the 
receive buffer adapted to store the data stream as a page 
of data samples, the receive buffer further adapted to 
output the page of data samples to the call processing 
software module: 

the memory further adapted with digital downconverter 
filter parameters; 

wherein the configuration management unit is further 
adapted to access the memory to lookup digital down 
converter filter parameters based on the power level 
adjustment parameters; 

wherein the configuration management unit is further 
adapted to output the digital downconverter filterparam 
eters to the digital downconverter. 

15. A radiohead interface module, the module comprising: 
a transmit buffer, the transmit buffer adapted to receive a 

data stream from a call processing Software module and 
store the data stream as a page of data samples having a 
page header, 
a transmit engine; 
a digital upconverter, the transmit engine adapted to 

transfer the page of data samples from the transmit 
buffer to the digital upconverter; 

a configuration management unit adapted to receive 
power level adjustment parameters from the call pro 
cessing Software module; and 

a memory adapted with digital upconverter filterparam 
eters; 

wherein the configuration management unit is further 
adapted to access the memory to lookup associated 
digital upconverter filter parameters based on the 
power level adjustment parameters; 

wherein the configuration management unit is further 
adapted to output the associated digital upconverter 
filter parameters to the digital up converter. 

16. The radio head interface module of claim 15, the mod 
ule further comprising: 

a receive buffer; 
a receive engine; and 
a digital downconverter; 
the receive engine adapted to transfer a data stream from 

the digital downconverter to the receive buffer, the 
receive buffer adapted to store the data stream as a page 
of data samples, the receive buffer further adapted to 
output the page of data samples to the call processing 
software; 
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the memory further adapted with digital downconverter 

filter parameters; 
wherein the configuration management unit is further 

adapted to access the memory to lookup the associated 
digital downconverter filter parameters based on the 
power level adjustment parameters; and 

wherein the configuration management unit is further 
adapted to output the associated digital downconverter 
filter parameters to the digital downconverter. 

17. A communication system comprising: 
a software module; 
a radio head interface module: 
a radio head unit; 
means for embedding channel signal gain parameters into 

a page header of a page of a first set of complex RF data 
samples; 

means for communicating the page of the first set of com 
plex RF data samples and page header from the Software 
module to the radio head interface module; 

means for extracting the channel signal gain parameters 
from the page header; 

means of communicating a second set of complex RF data 
samples from the radio head interface module to the 
radio head unit; and 

means for adjusting the signal gain of the second set of 
complex RF data samples based on the channel signal 
gain parameters. 

18. The communication system of claim 17 further com 
prising: 

means of communicating a third set of complex RF data 
samples from the radio head unit to the radio head inter 
face module: 

means of communicating a page of a forth set of complex 
RF data samples from the radio head interface to the 
Software module; and 

means for adjusting the signal gain of the forth set of 
complex RF data samples based on the channel signal 
gain parameters. 

19. A communication system comprising: 
a software module; 
a radio head interface module: 
a radio head unit; 
means for embedding channel signal gain parameters into 

a page header of a page of a first set of complex RF data 
samples; 

means for communicating the page of the first set of com 
plex RF data samples and page header from the Software 
module to the radio head interface module; 

means for extracting the channel signal gain parameters 
from the page header; 

means of communicating a second page of complex RF 
data samples from the radio head unit to the radio head 
interface module: 

means of communicating a page of a third set of complex 
RF data samples from the radio head interface to the 
Software module; and 

means for adjusting the signal gain of the third set of 
complex RF data samples based on the channel signal 
gain parameters. 

k k k k k 
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