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ROBUST BURST DETECTION AND
ACQUISITION SYSTEM AND METHOD

CROSS-REFERENCE TO RELATED
APPLICATIONS

This application claims priority to U.S. Provisional Patent
Application No. 60/296,450, filed on Jun. 8, 2001, entitled
“ROBUST BURST DETECTION ACQUISITION SYS-
TEM AND METHOD,” to U.S. Provisional Patent Applica-
tion No. 60,296,455, filed on Jun. 8, 2001, entitled
“RECEIVER HAVING INTEGRATED SPECTRAL
ANALYSIS CAPABILITY,” and is related to U.S. patent
application Ser. No. 10/164,355, filed on Jun. 7, 2002, entitled
“RECEIVER HAVING INTEGRATED SPECTRAL
ANALYSIS CAPABILITY” and U.S. patent application Ser.
No. 09/430,821, filed on Oct. 29, 1999, entitled “BURST
RECEIVER SYSTEM?”, all of which are incorporated herein
by reference.

BACKGROUND OF THE INVENTION

1. Field of the Invention

The present invention relates to a burst demodulator for use
in a high speed bidirectional digital transmission of voice,
video, and data, and more particularly, to a robust TDMA
burst receiver and a method for reliably detecting a preamble.

2. Related Art

Modem two-way communication for cable television,
hybrid fiber/coax systems, wireless local multipoint distribu-
tion systems, and microwave multipoint distribution systems
use time division multiple access (TDMA) to carry short burst
transmissions in an upstream direction (return path) from
multiple subscribers to a headend receiver. FIG. 1 shows an
example of a TDMA time slot. In general the return path
transmission characteristics, power level, and the clock offset
from each subscriber will be different, thereby requiring the
headend receiver to re-synchronize to each of the TDMA
bursts. In order to minimize overhead time, it is desirable that
the TDMA burst receiver be capable of reliably recognizing
and synchronizing the preamble in as short a time as possible.

Existing TDMA burst receivers recognize and synchronize
to a TDMA burst by correlating a preamble received at the
beginning of the burst to an internal representation of the
preamble stored in the TDMA burst receiver. A complication
in the recognition and synchronization of the preamble is that
a high power level of the TDMA burst transmission may
cause the TDMA receiver to mistake a sidelobe peak of the
autocorrelation of the preamble for the main peak.

A further complication is that message data from the sub-
scriber may have the same or nearly the same symbol pattern
asthe preamble. Yet a further complication is that narrowband
noise or ingress may partially mask or emulate the TDMA
burst transmission or be so large that its correlation to the
preamble is as great as the main peak. A traditional solution to
these complexities is to use a long preamble sequence of a few
hundred symbols or more. However, such a long preamble
sequence increases the time overhead of a system and is
uneconomical for a system having data messages of less than
a few thousand symbols.

Robust burst detection of high-order constellation modu-
lation formats (e.g., 256-QAM), in presence of large carrier
frequency offset, large dynamic range, and severe channel
impairments such as narrow-band interferers, poses serious
challenges. A typical burst receiver may only deal with a
subset of these issues.
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Accordingly, a need exists for robust burst detection using
only minimum number of preamble symbols.

SUMMARY OF THE INVENTION

The present invention is directed to a robust burst detection
and acquisition method and system in a burst communication
system that substantially obviates one or more of the prob-
lems and disadvantages of the related art.

One advantage of the present invention is being able to
utilize relatively short preamble sequences for burst param-
eter estimation.

Another advantage of the present invention is being able to
use higher order QAM modulation schemes.

Additional features and advantages of the invention will be
set forth in the description which follows, and in part will be
apparent from the description, or may be learned by practice
of the invention. The objectives and other advantages of the
invention will be realized and attained by the structure par-
ticularly pointed out in the written description and claims
hereof as well as the appended drawings.

To achieve these and other advantages and in accordance
with the purpose of the present invention, as embodied and
broadly described, there is provided a method of parameter
estimation in a shared channel communications system com-
prising the steps of receiving a preamble comprising first,
second and third sequences corresponding to sequences hav-
ing zero autocorrelation, performing a coarse carrier fre-
quency estimate based on the first sequence, and performing
afine carrier frequency estimate based on the second and third
sequences.

In another aspect of the present invention there is provided
a method of ranging in a shared channel communications
system comprising the steps of receiving a ranging preamble
comprising a first near—CAZAC sequence followed by sec-
ond and third sequences whose derivatives correspond to
CAZAC sequences, performing a coarse carrier frequency
estimate based on the first sequence, and performing a fine
carrier frequency estimate based on the second and third
sequences.

In another aspect of the present invention there is provided
a method of tracking data in a shared channel communica-
tions system comprising the steps of receiving a ranging
preamble, performing a coarse carrier frequency estimate
based on the ranging preamble, performing a fine carrier
frequency estimate based on the ranging preamble, estimat-
ing gain based on the fine carrier frequency estimate, receiv-
ing a burst including a burst preamble and data, and correcting
the gain based on tracking the data.

In another aspect of the present invention there is provided
a method of receiving data in a shared channel communica-
tions system including the steps of receiving a burst including
apreamble and data, performing a carrier frequency estimate
and a gain estimate based on the preamble, tracking the burst
with an equalizer, adjusting the gain estimate based on at least
a main tap coefficient of the equalizer, wherein the equalizer
uses at least a portion of the data to derive the main tap
coefficient, and extracting symbols from the data.

In another aspect of the present invention there is provided
a system for ranging a receiver in a shared communications
channel comprising a filter that receives a signal from the
shared communications channel, the signal including a rang-
ing preamble that has a first sequence whose derivative is a
zero autocorrelation sequence, and second and third
sequences corresponding to a truncated first sequence, and
outputs Nyquist samples, a preamble processor/ranging sub-
system that receives the Nyquist samples from the filter, pro-
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vides a coarse carrier frequency estimate based on the first
sequence, and refines the coarse carrier frequency estimate
based on the second and third sequences to provide a fine
carrier frequency estimate, and a tracking subsystem that
extracts data from the signal based on the fine carrier fre-
quency estimate from the preamble processor/ranging sys-
tem.

In another aspect of the present invention there is provided
a system for parameter estimation in a shared channel com-
munications system comprising means for receiving a pre-
amble comprising a first sequence corresponding to a
sequence having zero autocorrelation, and second and third
sequences corresponding to a truncated first sequence, means
for performing a coarse carrier frequency estimate based on
the first sequence, and means for performing a fine carrier
frequency estimate based on the second and third sequences.

It is to be understood that both the foregoing general
description and the following detailed description are exem-
plary and explanatory and are intended to provide further
explanation of the invention as claimed.

BRIEF DESCRIPTION OF THE DRAWINGS

The accompanying drawings, which are included to pro-
vide a further understanding of the invention and are incor-
porated in and constitute a part of this specification, illustrate
embodiments of the invention and together with the descrip-
tion serve to explain the principles of the invention. In the
drawings:

FIG. 1 illustrates a typical TDMA time slot;

FIG. 2 is a block diagram of an exemplary cable-based
communications system;

FIG. 3 is a diagram illustrating the head end architecture at
a cable modem termination system (CMTS);

FIG. 4 further illustrates the relationship between compo-
nents at a head end of a cable modem termination system
(CMTS) of FIG. 2;

FIG. 5 illustrates a burst as a function of time;

FIG. 6 is ablock diagram illustrating a burst receiver of one
embodiment of the present invention;

FIG. 7 is a generalized block diagram illustrating reception
of a signal including ingress noise;

FIG. 8 is a generalized block diagram illustrating reception
of a signal and its filtering;

FIG. 9 illustrates an embodiment of the present invention in
block diagram form;

FIG. 10 shows a structure of the preamble correlator of one
embodiment of the present invention;

FIG. 11 illustrates a direct correlation vector using a
CAZAC sequence;

FIG. 12 illustrates a differential correlation vector using a
CAZAC sequence;

FIG. 13 illustrates a correlation vector for a preamble with
four CAZAC-type sequences; and

FIG. 14 illustrates a look up table for gain correction used
in an embodiment of the present invention.

DETAILED DESCRIPTION OF THE INVENTION

Reference will now be made in detail to the embodiments
of the present invention, examples of which are illustrated in
the accompanying drawings.

This invention relates to a communication system where
many users are shared. In one embodiment, it relates to a time
division multiple access (TDMA) communication system. In
a TDMA system such as a DOCSIS (Data-Over-Cable Ser-
vice Interface Specifications) based cable network in the
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4

upstream communication, one needs a burst receiver which
can detect packets from different subscribers. It will be appre-
ciated that the invention is also applicable to other modulation
schemes, such as FDMA, CDMA or SCDMA, although the
description that follows is primarily done in terms of TDMA.

Typical thermal noise, as well as other factors result in
detector and symbol processor imperfections. If the only
inaccuracies present in the system were due to thermal noise,
the signal-to-noise ratio of such a system would be approxi-
mately 30 dB which would allow the use of 256-QAM modu-
lation. However, practical systems normally operate at much
lower order QAM, for example 16-QAM, due to an inability
to accurately estimate the relevant parameters. The param-
eters of primary interest are carrier frequency, carrier phase,
gain, and symbol timing. Taking areal 16-QAM system as an
example, carrier phase may be approximately 20 MHz. Car-
rier phase error of 5 degrees would be noticeable for 16-QAM
modulation. %4 dB to % dB gain error is noticeable for
16-QAM, as would 5 -10% error of a symbol timing window.
With regard to symbol rate, for 5.12 mega-symbols per sec-
ond, a 1% error rate corresponds to 50 KHz. Thus, if carrier
frequency is off by 50 KHz, the receiver will begin to have
problems distinguishing the symbols. Thus, any mechanism
that allows for a more precise estimation of parameters allows
for a system that performs much closer to the theoretical limit,
allowing in turn an increase in data rate transmission.

Autocorrelation is a measure of the randomness of a signal.
A CAZAC (constant amplitude zero autocorrelation)
sequence has a frequency spectrum comprised of constant-
amplitude components that extends over the entire bandwidth
of the transmission channel. A large body of literature is
generally available on the subject of CAZAC sequences. For
background, the reader is generally referred to, for example,
U.S. Pat. No. 4,089,061, as well as to standard texts on digital
communications and signal processing. Below is a brief sum-
mary of CAZAC sequence properties and derivation.

CAZAC sequences may be derived from binary pseudo-
random sequences exhibiting a property P1.

{a,} will designate a binary pseudo-random sequence of
period or length L: {a,}={a,}=a,a,a, . . . a;_,, where the
elements a, are equal to £1. The autocorrelation matrix of this
sequence is:

Ao AL ... A
Al Ao ... Ao
A Ag

where A is the g™ coefficient of the periodic autocorrelation
function:

~
L

Ag = GiGiyg

i
o

forg=0,1,...(L-1).

All sequences {a,} such that A;=L and A =1 forg=1, ...,
(L-1) are said to have the property P1. The binary pseudo-
random sequences that are known as maximum length binary
pseudo-random sequences exhibit property P1.

For example, for =15, one obtains the sequence:

000100110101111 (D
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Replacing each 0 by -1, one obtains a sequence which
exhibits property P1:

-1-1-11-1-111-11-11111 2)

Another family of periodic binary pseudo-random
sequences exhibiting property P1 comprises all sequences
whose elements are determined by the quadratic and non-
quadratic residues of prime numbers of the 4K~1 form. These
sequences have a length [ defined as [[=4K-1 where L. is a
prime number and K a positive integer. For example, for
L~=11, the following sequence is obtained:

11-1111-1-1-11-1 3)

The CAZAC sequences may be obtained by adding an
imaginary constant jo. to each of the elements a;, of the
sequences which have the property P1. This constant is
defined as

1 “

For example, in the case of sequence (2) of length =15,
a=20.2582. If a value of a=+0.2582 is selected, sequence (2)
becomes:

—14+0.25827; -1+0.25825; -140.25825; +140.2582;;
—-1+0.2582/; —140.2582j; +1+0.2582j;
+1+0.2582j; —1+0.2582/; +1+0.2582);
—140.2582j; +1+0.2582/; +1+0.2582/;
+140.2582/; +1+0.2582;.

(=~D.
The sequence thus obtained will be designated {u,} here-
after. The autocorrelation matrix of these sequences is:

Uy U, Uy ... U,
U U Uy
y| Y U -2
U U U
U Uy

where U, is the g” coefficient of the periodic autocorrelation
function

r

i
)

forg=0,1,..
U,

All sequences {u, } have the following property P2:

., (L-1), and u,*+g* is the complex conjugate of

Ug=0 and U=0 for g=1,. .., (L-1).

Subsequently, it will further be assumed that U= which
can be obtained conventionally by dividing each element of
sequence {u,} by a suitable factor.

If the transmitted training sequences {u, } have the follow-
ing property P3:

Up=L and U=0 for g=1, . .., (L-1).

Such a sequence, which has an autocorrelation function all
the coefficients of which except the first, U, are zero and all
of elements are complex numbers having a constant ampli-
tude, is also a CAZAC sequence.
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Another family of CAZAC sequences, as defined above, is
comprised of sequences {u,} of length L=K? defined as
u,=WF, where

B,y=0,1,...,(K-1)

i=Kp+y=0, 1, ..., (L-1), and p1 W is a primitive K? root

of unity, e.g., W=exp (2/K).

The sequence can be obtained by using the elements in the
successive rows of the matrix (WFY).

For example, for K=4, [.=16, and W=exp (jn/2), the matrix
(WPY) is written

11 1
jo-1 -
-1 1 -1
-j -1

whY =

— o e

The following sequence is obtained:
T1111j-111—j1-11-11-j-1}

It should be noted that the elements of this sequence have
a constant amplitude equal to 1 and can have four different
phases.

Another family of CAZAC sequences is comprised of all
sequences {u,} of length [.=0dd integer, defined as

2
u=w

where i=0, . . ., (L-1), and W is a primitive L root of unity.
For example, with [L.=3 and W=exp (j27/3), the following
sequence is obtained:

1, cos 27t/3+j sin 271/3, cos 27/3+j sin 27/3.

Another family of CAZAC sequences comprises the
sequences {U, } of length L=m**+1 defined as u,=ag (modulo
m) WP where

{a,} is a CAZAC sequence of length m

n=0,1,...,(m-1)

B=0,1, ..., (M-1) M=m**'
v=0,1, ..., (@-1) n=m*
i=Mp+y, and

W is a primitive M” root of unity.

The sequence can be obtained by using the various ele-
ments in the successive rows of the MxN matrix defined as (a
(modulo m)) WP, For example, for m=2 and k=1, one has
L=2°=8, m=2°=4, n=2"=2, and W=exp jr/2=j.

If {a,}=1, j is selected as a CAZAC sequence of length
m=2, the following sequence results:

11j-11-1j1

A CAZAC sequence {u, }={u;_,,,} of length [=4 m may
be used which is derived from two CAZAC sequences {a, }
and {b,} of length m. The sequence {u,_,, } is obtained by
putting

u,,=a, (modulo m)

Uy, 1, =b, (modulo m) W*

fork=0,1, ..

of unity.

., (2m-1), where W is a primitive (2 m)” root

For example, from the CAZAC sequences of length m=4,
{a;}={b;}=1 1 1 -1, the following CAZAC sequence
{u,}={u 4} of length L=16 results:

1,1,1,e%4,1,j, -1, ¥4, 1, -1, 1, e¥7/4,
1,-j, -1, —e7/4.
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A 4-phase CAZAC sequence {c,} of length 16 symbols
can be determined by

Cam= " =T, 20,1,2.3,1=0,1,2,3{c,}={1,1,1,1.1,
Jo =1 1-11-1, 1=/ 17}

A QPSK sequence corresponding to the above sequence is:
14, 14], 14j, 14, 14j, =1+j, =1-j, 1-j, 1-j, 14j, =1—],
1+j, —1-j, 14j, 1-j, -1j, - 14j

For notational purposes, if ¢y, c,. . . ¢, 5 refers to a CAZAC
sequence {C,}=0.5.%[14], 14, -1, 14, 14+j, =14, 14§, 1},
14, =1-j, =14, =1+, 14, 1-j, 14, =14j] (a 16 symbol
CAZAC sequence), the sequence {d,;}=d,, d, . .. d, will
refer to a sequence such that a discrete time derivative of
{d,,}={ci6}, 1€, {cs} is a derivative of {d,,}, where the first
symbol d,=14j is added to the sequence to enable the differ-
entiation to result in a 16 symbol sequence (i.e., d,=d,):

{d)7}=0.5*[14], 14/, 14], ~1=j, =1}, -1j, 1=}, 1,
—1-j, =1, 14], -1=j, 14, 4], 1), 1= 147

A corresponding 16 symbol differential sequence
{d,6}=0.5.%[14, 14, =1, =1—j, =1, 1, 1, =1, =1,
14, =1, 14j, 14j, 1-j, 1=, 14j] is a 16 symbol near {d,,}
and CAZAC sequence (i.e., with the symbol d, of {d,,}
deleted)—in other words, although {d, s} are not, strictly
speaking, CAZAC, their properties are such that the receiver
can detect it as if it were CAZAC. {d, s} may also be referred
to as a truncated {d,,} sequence (in this case, truncated by
one symbol).

Note also that {c, s} represents the changes in {d,,}. Con-
versely, again ignoring the distinction between discrete and
continuous functions {¢, ;}=d{d, - }/dn (n being the time vari-
able). When d, is unchanged in two successive symbols, ¢, is
14j. When d, is inverted (180 degree change from one symbol
to the next), ¢, is —1—j. When d, rotates 90 degrees in one
direction, ¢, is 1-j. When d, rotates 90 degrees in the other
direction, ¢, is —1+j. This means that {c, s} is the differential
decoding of {d,,}—decoding {d,,} gives a CAZAC. Con-
versely, {d,, } is the differential encoding of {¢, s} —encoding
a CAZAC gives a near-CAZAC. Note further that a CAZAC
is a special case of a zero autocorrelation sequence. Since the
signals are digital, the term “derivative” or “differentiation”
here is used to refer to discrete operation, rather than continu-
ous. Similarly, {d, s} represents an integral of a discrete func-
tion (sequence) represented by {C 4}

FIG. 2 is a block diagram of an exemplary cable based
communications system 100 according to the present inven-
tion. The communications system 100 includes a master hea-
dend 102, hubs 104a-b, nodes 106a-d, and a plurality of
subscribers 108. The subscribers 108 exchange bidirectional
communications traffic with a master headend 102 through
various optical and electrical media. For instance, communi-
cations traffic is passed between the master headend 102 and
the hub(s) 104 through optical media, while communications
traffic is passed between the nodes 106 and the subscribers
108 through electrical media. These optical and electrical
media are described below.

Fiber optic backbone segments 120a-c provide an inter-
connection between the master headend 102 and the hubs
104. As shown in FIG. 2, the backbone segments 120a-c each
have exemplary distances of twenty miles or less. However,
distances greater than twenty miles are within the scope of the
present invention.

The nodes 106 each provide an interface between optical
communications media and electrical communications
media. As shown in FIG. 2 the fiber optic lines 122 establish
connections between the hubs 104 and the nodes 106. For
example, the fiber optic line 1224 connects the hub 1045 and
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the node 1064. Also, the nodes 106 are each coupled to one or
more coaxial cables 124. The coaxial cables 124, in conjunc-
tion with coaxial cables 126, exchange electrical signals with
the subscribers 108. For example, the coaxial cable 1244 and
the coaxial cable 1264 connects the node 1064 with the sub-
scribers 108¢ and 1081

Traffic in the communications system 100 includes
upstream traffic and downstream traffic. Downstream traffic
is received by the subscribers 108 from system elements, such
as the master headend 102. In contrast, upstream traffic is
originated by the subscribers 108 and directed to system
elements, such as the master headend 102.

For the coaxial cables 124, the upstream and downstream
traffic are each allocated to a particular frequency band. For
example, upstream traffic may be allocated to a 5-42 MHz
frequency band, while downstream traffic may be allocated to
a 54-860 MHz frequency band. One or more frequency chan-
nels exist within these frequency bands that provide for the
transmission of signals. These signals are modulated accord-
ing to a digital modulation scheme, such as quadrature ampli-
tude modulation (QAM) or quadrature phase shift keying
(QPSK).

Multiple subscribers 108 share the electrical and optical
communications media of the communications system 100.
For instance, in the context of the coaxial cables 124 and 126,
the subscribers 108 transmit signals across the same fre-
quency channel in the same coaxial cable 124. To accommo-
date such frequency channel sharing, the communications
system 100 employs a multiple access technique, such as
TDMA for upstream traffic.

TDMA is a transmission scheme that allows a number of
subscribers 108 to transmit information across a single fre-
quency channel without interference. This is enabled by allo-
cating unique time slots to each subscriber 108. According to
TDMA, the subscribers 108 send upstream transmissions
across a channel during one or more time slots that occur
within a TDMA frame. Various types of time slots exist. Three
examples are reservation slots, contention slots, and mainte-
nance slots.

The present invention provides a receiver having on-board
spectral analysis capabilities that may be synchronized to one
or more particular upstream transmissions. Accordingly, the
receiver may be included in the communications system 100
elements, such as the nodes 106, the hubs 104 and/or the
master headend 102. The receiver may be implemented on a
chip.

Embodiments of the present invention employ techniques
that digitally compute spectral information corresponding to
one or more transmissions. For example, the present inven-
tion may employ Fast Fourier Transforms (FFT), filter banks,
such as quadrature mirror filter banks and wavelet filter
banks, and any other spectral analysis techniques that are
apparent to persons skilled in the relevant art.

An embodiment of the present invention further provides
an on-chip spectral analysis capability that is traditionally
performed by general-purpose processors, rather than by
receivers such as TDMA burst receivers. This on-chip capa-
bility advantageously provides for the performance of sophis-
ticated spectrum management functions in a practical and
economical manner. For instance, the present invention elimi-
nates the need for external spectrum computation equipment.
Furthermore, the present invention does not require special
software to be written to compute the spectrum.

This spectral analysis may indicate the spectral shape of
transmitted signals, including whether they meet any speci-
fied transmit spectral mask(s). In addition, this analysis
reveals the presence of interfering signals, the background
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noise floor (including its level and shape), and the presence of
partial spectral nulls in the upstream transmission signals.
Such nulls indicate reflections (echoes) in the upstream path.

When operating in a TDMA environment, this spectral
analysis (e.g., performing an FFT) may be synchronized to
one or more TDMA slots. This permits the analysis of the
spectrum of a single user transmission, and/or a class of user
transmissions (e.g., for each type of TDMA slot). As a result,
this spectrum analysis yields channel quality information that
can be used to efficiently manage the usage of TDMA,
FDMA, and TDMA/FDMA systems.

This channel quality information may include spectral
measurements arranged in a plurality of bins that each corre-
spond to a respective frequency range. These bins are each
computed from the same block of transmission signal
samples. Thus, the present invention eliminates the afore-
mentioned confusion generated by swept spectrum analyzers,
since no sweeping occurs.

One embodiment of the present invention provides an on-
chip FFT computation capability integrated into a headend
burst receiver chip. FIG. 3 further illustrates the configuration
of'the master head end 102 of one embodiment of the present
invention. As illustrated in FIG. 3, analog inputs 220 are
received by a burst receiver 202. The burst receiver 202 com-
municates with a MAC controller 206.

The MAC controller 206 communicates over the Ethernet
234 with a Routing/Classification Engine 233, which in turn
is connected to a Wide Area Network 244 (WAN). The MAC
controller 206 utilizes upstream SDRAM 236 for keys in
reassembly, and further utilizes upstream SDRAM 235 for
PHS output queues.

The MAC controller 206 is connected to a PCI bus 249, and
through the PCI bus 249 to a System CPU 246 and a System
Memory 247. The MAC controller 206 is further connected to
a downstream SDRAM 248. Data flows through the down-
stream modulator 231, and is then output as downstream
analog transmission 232.

FIG. 4 is a block diagram illustrating the spectrum man-
agement architecture of the present invention. This architec-
ture includes the upstream burst receiver 202, a spectrum
management/allocation module 204, the upstream media
access controller (MAC) 206, and a management information
base (MIB) 208.

The upstream burst receiver 202 receives an upstream
transmission 220 from a shared communications medium
210, which may be one of several types of communications
media, for example, a coaxial cable, a fiber optic transmission
medium, a satellite communication system, or a wireless
medium that conveys wireless radio frequency (RF) signals.

The upstream transmission 220 is a burst transmission
(also referred to herein as a packet) that is transmitted by a
user, such as the subscriber 108 (see FIG. 2). The upstream
burst receiver 202 acquires the timing of packet 220 and
decodes it according to an error correction coding scheme
(e.g., Reed Solomon), and obtains the payload (i.e., user data)
from each packet 220. An example of a packet waveform is
illustrated in FIG. 5.

The upstream burst receiver 202 passes some of the recov-
ered information to the MAC controller 206. For example,
some burst transmissions from users are requests for band-
width allocation. The MAC controller 206 receives such
requests and, in response, allocates upstream communica-
tions capacity to satisfy such requests. In addition, the
upstream burst receiver 202 transfers traffic performance sta-
tistics to the MAC controller 206. Examples of these statistics
include packet error rates (PER) and signal to noise (SNR)
ratios.
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The spectrum management/allocation module 204
receives information from the upstream burst receiver 202,
the MAC controller 206 and the MIB 208.

From this information, the spectrum management/alloca-
tion module 204 generates upstream channel frequency
assignments, which are sent to the upstream burst receiver
202. These assignments instruct the upstream burst receiver
202 to operate within certain portions of the upstream RF
spectrum. In addition, the spectrum management/allocation
module 204 generates an upstream channel allocation mes-
sage that is sent to the subscribers 108. This message directs
the subscribers 108 to operate within certain portions of the
RF spectrum.

The spectrum management/allocation module 204
receives a channel quality message 226 from the MAC con-
troller 206. This message includes information such as packet
error rates (PER), and packet SNR.

The spectrum management/allocation module 204
receives an FFT message 222 from the upstream burst
receiver 202. In addition, the spectrum management/alloca-
tion module 204 receives a channel SNR (channel noise
power) message 224 from the upstream burst receiver 202.

The spectrum management/allocation module 204
receives a spectrum availability message 230 from the MIB
208. The spectrum management/allocation module 204 pro-
cesses these received messages and, in response, generates a
spectrum allocation plan. The spectrum allocation plan des-
ignates which portions of the spectrum are used by which
subscriber to transfer information across the shared commu-
nications medium 210. In addition, this plan specifies the
characteristics of individual signals transmitted across these
spectral portions. For example, the plan may specify transmit
powers, data rates, and spacing between frequency channels
in an FDMA environment.

As further shown in FIG. 6, the embodiment includes an
advanced dual-channel cable network receiver which accepts
upstream burst data in a frequency-agile, time-division mul-
tiple access (IDMA) scheme (only one channel is shown in
the figure for clarity). The architecture of the burst receiver
202 in an embodiment includes an FFT processor 250. The
burst receiver 202 further includes an analog front end (AFE)
251 (including a multiplexer), which forwards the received
data into a digital complex mixer 252 IP. The burst receiver
202 can decode signal formats from BPSK up to 256-QAM.

The analog front-end (AFE) 251, a QAM demodulator 257
and an FEC (forward error correction) decoder 263 are inte-
grated for each channel. The AFE 251 performs A-to-D con-
version on either an IF input, an RF input, or baseband 1/Q
inputs. A multiplexing logic may be also included to share the
same ADC output between two receive channels or to receive
digital samples from an external ADC. The multiplexing
logic can receive external ADC outputs at much higher sam-
pling rates to perform direct RF sampling. The multiplexing
logic allows the receiving two frequency channels from the
same cable network, or process inputs from two separate
cable networks.

A digital quadrature down-mixer 252 translates an input
spectral center to true DC. The mixer 252 is used to move the
quantize IF samples to true DC, for example, using quadra-
ture carriers generated from a programmable direct digital
frequency synthesizer (DDFS) 273. The digital down-mixer
252 then translates the desired channel down to DC.

The I and Q samples pass through decimators 253, 254 and
square-root raised cosine filters 255, 256 with an excess band-
width a=0.25. The over-sampled I and Q signals from the
digital down-mixer 252 pass through dual decimators 253,
254 that are programmed based on the expected symbol rate.
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The decimated samples pass through dual square-root
Nyquist filters 255, 256 with an excess bandwidth a=0.25 to
match the pulse-shaping filters on transmitter side.

Fast burst detection and acquisition are performed on the
preamble with programmable length and pattern. The fast
acquisition for carrier phase and symbol timing is performed
on preamble symbols. Each received TDMA burst contains a
PHY overhead which includes a preamble using QPSK-like
signaling, no matter what is the actual modulation format for
the payload. Since the four-fold ambiguity of the carrier
phase can be resolved by matching the preamble pattern,
there is no need for differential coding which degrades the
effective FEC performance. Depending on the payload
modulation format, the burst receiver 202 may acquire burst
synchronization on a short preamble, even if the burst-to-
burst power variation is over 20 dB. An option of processing
a BPSK preamble is also preferably provided.

An adaptive equalizer 258 characterizes the RF channel
response and removes inter-symbol interference (ISI) caused
by micro-reflections. An equalizer is needed at high symbol
rates, especially for high modulationlevel (beyond QPSK), to
mitigate channel impairments due to micro-reflections. The
embodiment implements a 24-tap complex linear (feed-for-
ward) equalizer. During initialization, the equalizer 258
adapts to each subscriber channel and sends its coefficients to
the MAC controller 206. The MAC controller 206 sends the
information back to the individual subscriber 108 via the
downstream path 232 to program the transmitter’s pre-equal-
izer. This scheme avoids the need for long preambles for
future incoming bursts from the same subscriber 108, and
improves the overall efficiency of bandwidth usage.

An ingress-cancelling processor 258 suppresses narrow-
band noise and/or adjacent-channel interference (ACI). The
Forward Error Correction (FEC) decoder 263 performs
deinterleaving, descrambling and RS decoding with flexible
parameters. The recovered data stream is delivered and burst
receiver 202 control inputs are accepted through a MAC/PHY
receive interface 265 linked to a MAC controller 206. The
embodiment can interface with the MAC controller 206 with
serial bit transfer, and also supports an advanced MAC/PHY
interface for higher data rates. An on-chip FFT processor can
analyze an RF spectrum with a selectable bandwidth and
length.

The ingress cancelling logic analyzes the noise environ-
ment of the desired upstream channel. The ingress cancelling
logic then suppresses narrow-band ingress and/or adjacent-
channel interference appearing in the desired upstream chan-
nel to maximize the usage of the entire upstream band.

The upstream transmitter (user) 108 scrambles the data
stream to ensure adequate symbol transitions for symbol tim-
ing recovery in the burst receiver 202. A descrambler 272
recovers the raw data stream and is reinitialized on each burst.
The generator polymial and initial seed are both program-
mable up to 23 bits.

The upstream transmitter 108 performs data interleaving
within each burst in a byte format. The interleaving type is
block interleaving with variable block size and interleaving
depth depending on the burst type. Thus, the deinterleaver
262 supports real-time changes on the interleaving block size
and depth. In a dynamic mode, the deinterleaving block size
can be adjusted within one burst to avoid leaving a small
fraction for the last interleaving block.

The Reed-Solomon decoder 264 is over GF(256) and is
programmable to correct errors from 1 to 16 bytes within an
FEC data block (or codeword). The generator polynomial is
also programmable. The last FEC codeword can be either
fixed-length or shortened.
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The FEC decoder 263 can be configured to have the
descrambler located either before the deinterleaver 262 or
after the RS decoder 272.

The data from the demodulator 257 and the equalizer 258
is utilized by a ranging block 259 in order to allow for difter-
ent distances (ranges) to the transmitter. The wide-spread
distance from head-end to each subscriber in a cable network
introduces relatively large receive timing and power uncer-
tainties for the receiver, which must be compensated for by
means of a ranging process during initialization. A special
ranging sequence with a long preamble in a ranging time slot
is preferably reserved, as described below. The ranging block
259 estimates the receive timing and amplitude of the ranging
sequence and passes the measurements to the MAC controller
206. The MAC controller 206 assembles the information and
sends it back to the individual subscriber 108 via the down-
stream path 232 (see FIG. 6). The subscriber 108 can then
adjust its own transmit timing and power level. Any large
frequency offset in a transmitter is also measured and can be
corrected during the ranging process.

A preamble processor 260 analyzes the preamble in each
burst. The data from the preamble processor 260 is also uti-
lized by the ranging block 259.

Tracking loops 261 also utilize the data from preamble
processor 260.The operation of the digital tracking loops for
carrier phase and symbol timing follows the initial preamble
process. The tracking loops 261 further utilize the adaptive
equalization and ingress cancellation module 258. Data is
then forwarded to a forward error correction interface module
263.

The forward error correction 263 interface uses inputs from
the descrambler 272 and the RS decoder 264. Output from the
forward error correction interface 263 is used by the deinter-
leaver 262 and the MAC/PHY interface 265 for Receive
Channel A 279.

Additional detail of this embodiment, particularly as it
relates to the FFT aspect, may be found in commonly
assigned U.S. patent application Ser. No. 10/164,355, filed on
Jan.7,2002, entitled “RECEIVER HAVING INTEGRATED
SPECTRAL ANALYSIS CAPABILITY”, which is incorpo-
rated herein by reference.

Generally, when channel impairments such as narrow-
band interferers are present in the channel, a pre-filter, such as
an adaptive notch filter may be present to cancel the interfer-
ers, as shown schematically in FIG. 7. However, the notch
filter will create inter-symbol interference (ISI) to the rest of
the burst demodulator. This distorts the received signal pat-
tern and thus affects the fidelity of the correlation vector. In
order to avoid this effect, the preamble is preferably also
pre-distorted by convolving the preamble with the coeffi-
cients of the notch filter.

Generally, the effects of inter-symbol interference on the
statistics relating to transmission channel errors are relatively
minor, provided the delay spread of the channel is substan-
tially shorter than a duration of one symbol. For higher sym-
bol rates, the systems error rate performance usually deterio-
rates significantly.

Consider the situation shown in FIG. 8. In FIG. 8, a trans-
mitter at the user end transmits packets with a certain pre-
amble. The transmission passes through a square root raised
cosine filter 1005, prior to being transmitted over the channel
210. Additive white noise normally is present in the system.
At the receiver end, a square root raised cosine filter 1006 is
used, before being fed into a preamble matched filter 520. The
preamble matched filter 520 performs a correlation function
of the received preamble and a local replica of the preamble.

22



US 7,403,578 B2

13

The recovered signal should be the exact preamble that was
transmitted from the user end.

In practical systems, however, transmission systems fre-
quently suffer from narrow band noise, sometimes referred to
an ingress. As shown in the bottom diagram of FIG. 8, the
transmitter transmits a preamble which first passes through
the square root raised cosine filter 1005, before being trans-
mitted down the channel 210. At the receive end, the square
root raised cosine filter 520 is followed by a notch filter 515.

The signal then passes on to the preamble matched filter
(PMF) 520, which performs a correlation between the
received preamble and a local replica of the preamble. How-
ever, the local replica of the preamble needs to be predistorted
by appropriate notch filter coefficients, i.e.:

New preamble=Preamble* (notch filter coefficients).

Note that the preamble preferably should be scaled (nor-
malized), to insure proper operation of the correlation mecha-
nism.

One embodiment of a burst receiver architecture adapted to
robust burst detection as discussed above is shown schemati-
cally in FIG. 9. It includes a Start of Packet (SOP) detection,
initial parameter estimation, and fine tuning using tracking
loops and multi-pass processing on the preamble portion.
Preamble correlation of a known sequence, such as a 16-sym-
bol CAZAC sequence, is used as the basis of parameter esti-
mation.

FIG. 9 shows the overall system block diagram of a robust
burst receiver. Broadly speaking, the relevant portions of the
burst receiver 202 may be thought of as including carrier
frequency mixer 252, a filter 300, a preamble processor/
ranging subsystem 302, and a tracking subsystem 355.

Note that the filter 300 in FI1G. 9 corresponds to the variable
decimators 353 and 354 and the matched filters 255, 256 of
FIG. 6. The preamble processor/ranging subsystem 302 col-
lectively corresponds to the Preamble Processor Block 260
and the Ranging Block 259 of FIG. 6.

As shown in FIG. 9, the filter 300 receives a signal from the
analog front end 251 and the mixer 252. Typically, the filter
300 functions as a Nyquist-type filter, which outputs filtered
samples to a preamble correlator 305, and a second mixer
335. The preamble correlator 305 correlates the preamble in
the received burst with a locally stored replica of the preamble
and outputs a correlation vector (CV).

The correlation vector of the received signal with the
known sequence is sensitive to carrier frequency offset. To
preserve a unique peak of the correlation vector (CV) in the
presence of a large frequency offset, the differential correla-
tion technique may also be utilized to indicate the SOP flag
during ranging. The differential correlation refers to the cor-
relation of the differentially detected signals. The current
signal is multiplied by the complex conjugate of the previous
signal at (for example) one symbol apart to produce a new
signal. This differential signal is then correlated with the
differential preamble signal. This operation turns a frequency
offset into a phase offset, thus still producing a reliable peak
of the correlation vector even with a large frequency offset.
However, this operation results in a nominal 3 dB loss in the
effective signal-to-noise ratio (SNR) of the preamble corre-
lation at the receiver. Thus, this option can selectively be
disabled when for example the symbol rate is high, which
implies relatively small carrier frequency offset at a given
system frequency offset between the transmitter and receiver.

To produce constant, preamble correlation peak value in
view of different notch filter coefficients, the total power of
the pre-distorted preamble pattern is normalized as shown in
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FIG. 8. A preamble correlation block diagram with all these
techniques incorporated is shown in FIG. 10, as discussed in
further detail below.

Carrier frequency is estimated in two steps. First, the phase
of'the differential correlation peak provides the coarse carrier
frequency estimation. The coarse frequency error is compen-
sated by derotating the buffered preamble as referred above.
The error estimate is given by Af=arg[CV(t,) &/7). After that,
fine carrier frequency can be estimated by comparing the
phases of the two consecutive CV peaks as follows:

»
> PU)- Pk + N

k=1

Af = arg|

Note that this technique is insensitive to the ISI created by the
channel. However, its estimation range is limited to F, ./
(2N), where N is the correlation vector length in symbols (e.g.
a range of 3.125% of F,,, for N=16 symbols). Both a large
offset range and very accurate estimates can be achieved by
using both techniques in sequence.

Note also that in a typical low symbol rate transmission,
which usually corresponds to a large frequency offset, differ-
ential correlation is used, since there is little ISI/ICF. For a
high symbol rate, which corresponds to a small frequency
offset and high intersymbol interference/narrow band inter-
ference, direct correlation (rather than differential correla-
tion) of the preamble is used.

The peak value of the correlation vector provides an ampli-
tude estimate of the received signal. However, the correlation
peak value is sensitive to the residual error of the fine fre-
quency estimation. By compensating by the residual fre-
quency error, the gain estimation can be significantly
improved as shown the table of FIG. 14 and described below.
Furthermore, the initial gain estimation can be further
improved by enabling the fine gain loop—such as equalizer
tracking.

FIG. 10 shows additional detail of the preamble correlator
105. The digital signal from the filter 300 goes into a differ-
ential operator 503 that includes a delay element 505, a con-
jugation operator 504, and a multiplier 506. The local replica
of the preamble is convolved with prefilter coefficients in a
convolution operator 515. The result of the convolution
operation is fed into a differential operator 516. A prescaler
540 normalizes the local replica of the preamble, outputting a
normalized version of the local replica of the preamble. The
normalized local replica of the preamble and the differenti-
ated digital signal from the filter 300 are both input into a
preamble matched filter 520, which outputs the vector CV
corresponding to the convolution operation of the (differen-
tiated) input signal and the normalized local replica of the
preamble.

The output of the preamble matched filter 520 can be used
to determine if a packet has been received, i.e. to generate the
start of packet signal. In the case of ranging, the preamble
correlator performs a correlation between a differentiated
version of the preamble and a differentiated version of the
locally stored replica of the preamble {d, s} for N=16. In the
case of data packets containing a preamble and a data portion
as shown in FIG. 1, the preamble correlator 305 will perform
a correlation between a CAZAC sequence in the preamble,
and a locally stored replica {c, s} of the CAZAC sequence.

Returning to FIG. 9, the preamble correlator 305 outputs a
correlation vector (CV) to a Start Of Packet detector 310 and
to a parameter estimator 320. If the Start Of Packet detector
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310 detects that the packet is beginning by sensing a peak in
the CV, it will output a Start of Packet flag to the parameter
estimator 120.

The parameter estimator 320 is responsible for estimating
the four parameters of primary importance: frequency, gain,
phase, and symbol timing. Based on a peak of the correlation
vector (CV) in the case of ranging, the parameter estimator
will estimate a coarse carrier frequency based on a peak of the
correlation vector from the preamble correlator 305. An
example of a correlation vector CV is shown in FIG. 11, and
an example of a differential correlation vector is shown in
FIG. 12.

The parameter estimator 320 then outputs a coarse fre-
quency estimate based on a differential CV peak to the second
mixer 335. The second mixer 335 outputs phase adjusted
samples, with coarse frequency error removed (i.e., with
adjusted phase) to a buffer 330. The buffer 330 also stores the
samples outputted by the mixer 335. The bufter 330 provides
the phase adjusted samples to the parameter estimator 320
and to a multiplier 340.

During ranging, the parameter estimator 320 also performs
a fine carrier frequency estimate, based on the second and
third sequences. (An example of the second and third
sequences is {d; 4} {d, s}, as discussed above.) An example of
a correlation vector for the entire ranging preamble is illus-
trated in FIG. 13. As may be seen in FIG. 13, the left-most
peak corresponds to a peak of the correlation between a
derivative of the first received sequence (which is an integral
of a CAZAC sequence) and a locally stored replica of the
CAZAC sequence. The next two peaks corresponds to corre-
lations between derivatives of the second and third received
sequences, and the locally stored replicas of the CAZAC
sequence {016} {616}. Based on the second and third peaks
exceeding a predetermined threshold, the parameter estima-
tor 320 performs a fine carrier frequency estimate. The fourth
CAZAC sequence in the preamble may be used to perform a
check, verifying that the fine carrier frequency estimate has
been done correctly.

For ranging, (1) the first correlation vector (the differential
CV) is greater than a predetermined threshold th, (e.g., 60 in
FIG. 13), and (2) the peak-to-sidelobe ratio for the second CV
is greater than a predetermined threshold th,, and (3) there is
a slope change from positive to negative (i.e., there is a
defined peak for the second correlation vector CV, which is
about 78 in FIG. 13), and (4) at NT seconds later, the peak-
to-sidelobe ratio for the third CV is greater than a predeter-
mined threshold th,, and (5) there is a slope change from
positive to negative (i.e., there is a defined peak for the third
correlation vector CV, which s also about 78 in FIG. 13), then
the peaks are confirmed, and the signal is acquired, otherwise,
there is a reset. The peak to sidelobe ratio (PSR) is defined as:

CV (peak)/avg of CV (samples away from the peak)

and provides a relative SNR when gain is normalized (e.g.,

during ranging).

For packet acquisition, if CV(peak)>th,, and PSR>th, and
there is a slope change in the expected window, then there is
burst acquisition, otherwise there is a reset.

The parameter estimator 320 outputs the estimated gain to
the multiplier 340, which multiplies the output of the buffer
330 by the estimated gain from the parameter estimator 320,
outputting it to a third mixer 350. The third mixer 350 also
takes as an input the fine carrier frequency estimate and a
phase estimate from the parameter estimator 320. After per-
forming another phase adjustment, the third mixer 350 out-
puts the phase-adjusted signal to a resampler 370. The param-
eter estimator 320 also outputs a symbol timing estimate to a
baud loop 360.
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Still with regard to FIG. 9, the outputs of the third mixer
350 and the parameter estimator 320 go to a tracking sub-
system 355. Collectively, the resampler 370 and the baud loop
360 comprise a symbol timing subsystem 357. The symbol
timing subsystem 357 outputs re-timed symbol samples to an
adaptive equalizer/carrier loop block 375 (see also element
258 in FIG. 6).

Specifically, the adaptive equalizer/carrier loop block 375
includes a feed forward equalizer 380, which receives the
re-timed symbol samples from the resampler 370. The feed
forward equalizer 380 then outputs the forward equalized
samples to a fourth mixer 385. The fourth mixer 385 also
takes as input the output of a phase lock loop (carrier loop)
390, and then outputs phase adjusted forward equalized
samples to a decision feedback equalizer 392. The decision
feedback equalizer 392 includes a summer 395, a decision
block 395 and a feedback equalizer 393, as shown in FIG. 9.
The output of the decision block 395 are the symbols repre-
senting data.

Note that the carrier loop 390 and the baud loop 357 of FIG.
9 correspond to the tracking loops 261 of FIG. 6.

With regard to FIG. 9, it will also be appreciated that
certain applications may require additional phase adjustment.
For example, in the case of satellite communication, fre-
quency offsets are frequently very large. Thus, in such a
system, prior to inputting the signal into the filter 300 of FIG.
9, the signal may pass through a first mixer, to remove a very
large frequency offset often found in such satellite systems.

Additionally, as may be seen in FIG. 12, the differential
correlation vector (CV) outputted by the preamble correlator
305 in the case of a coarse carrier frequency estimate does not
always have a well defined peak. In that case, any number of
methods may be used to estimate the peak. For example, in the
embodiment, parabolic interpolation is used to interpolate the
peak of the differential correlation vector, based on the high-
est three points in the vector, as shown in FIG. 12. One of
ordinary skill in the art will appreciate that the invention is not
limited to the parabolic interpolation method, but may use
any number of techniques to estimate the location of the peak.

Additionally, the term “mixer” has been used in this con-
text to refer to a multiplier by €. This, of course, accom-
plishes a phase adjustment of the signal, without altering its
amplitude. It will be appreciated, however, that other methods
of'adjusting phase exist, in addition to multiplying the signal
by &/“”. For example, a CORDIC processor (coordinate rota-
tion digital computer), which performs a trigonometric rota-
tion by using shifts and adds, without any multiplies, may also
be used to accomplish the same purpose. Thus, for purposes
of'this application, the term “mixer,” “derotator” and “phase
adjuster” are used interchangeably, to refer to any mechanism
for adjusting the phase of a signal.

It has been found empirically that certain combinations of
CAZAC sequences provide superior results, particularly
when cyclic continuations are included are added to the
CAZAC sequence. For example, consider a CAZAC
sequence of length 16, designated by {c,s}, which has the
following symbols:

€0, €1, €2 -+ - Cy5

It has been found experimentally that rather than using a
“bare” CAZAC sequence as above, it is preferable to use a
20-symbol sequence as follows:

€14, €15 €0>€15C2 - - - €155 C» €y

Which may be written as ¢4, C;5, {C14}, €, €;- The sym-
bols C,,, C,5 in front of the CAZAC sequence are referred to
as a “cyclic continuation,” with the inherent property that
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these symbols must correspond to a continuation of the
CAZAC sequence (i.e., forasequence {C;,}=C4, €1, €, .. . C51,
the cyclic continuation preceding the sequence {c;,} would
be C;,, C;,, and the cyclic continuation following the
sequence {c;,} is ¢, ¢;). Note that the sequence of symbols

€145 €15 €0> €15 €2 - - - €155 Cpr €y

does NOT have the CAZAC property, although it is derived
from a CAZAC sequence as Cy4, Cis, {Ci6}, Coy €; (L€, @
two-symbol cyclic continuation in front of the CAZAC
sequence, and a two-symbol cyclic continuation after it). It
will also be appreciated that the cyclic continuation need not
be two symbols long.

One embodiment for ranging includes at least four
sequences plus one cyclic continuation symbol as follows:

{d17}{d16}{d16}{d16}

for a 65 symbol long ranging preamble. The sequence {d,,}
is used for a coarse frequency estimate, the sequence {d, s}
{d,s} is used for a fine frequency estimate, and the last
sequence {d, 4} is used to perform a check. (See FIG. 13).

In the case of preambles in bursts that contain a payload,
other possible sequences are:

C14 C155 {€16}» Co» €1 (a 20 symbol sequence)
14 15 {C16)> {C 16} Co» €1 (2 36 symbol sequence)

C14 C155 {€16}» {C16}»> {C16} (a 50 symbol sequence)
ete....

Which sequence to use in the preamble depends on the
order of modulation desired, channel characteristics, etc.

It will also be appreciated that the signal-to-noise ratio
(SNR) is determined during ranging. Additionally, if other
modems are already operating on the channel, the burst
receiver 202 may use information from the other modems to
generate an initial estimate of the signal-to-noise ratio.

Additionally, one of the advantages of the present inven-
tion is that tracking may be performed continually, including
during the data portion of the burst. In other words, although
the parameter estimator 320 provides initial estimates that
may be true during the preamble portion of the burst, an even
better parameter estimate may be accomplished by continu-
ally tracking the data. This is accomplished in the decision
feedback equalizer 392. Specifically, in one example, once
the data portion of the burst is received, the feedback equal-
izer will gradually converge towards a set of equalizer coef-
ficients (equalizer taps). If the initial gain estimate was too
high, the main tap will decrease slightly, and if the initial gain
estimate was too low, the main tap will increase slightly, to
reflect an even better estimate of the gain required.

Additionally, other taps of the equalizer 392, in some cases
all the taps of the equalizer 392, may be used to adjust the
gain, depending on system parameters. For example, for sat-
ellite communications, typically only the main tap of the
equalizer will be required, while for cable modem transmis-
sions, more than just a main tap may be needed. Also, there
are a number of mathematical functions that can take into
account the energy in all the equalizer taps, for example, sum
of squares.

FIG. 14 illustrates the concept of correcting the gain versus
carrier frequency error. As the table of FIG. 14 illustrates, the
parameter estimator 320 can look up the estimated correction
factor based on the frequency error while it is tracking data,
and adjust gain accordingly. The fine gain tracking may be
performed on the entire payload of the burst, or on a subset of
the payload.
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It will be appreciated that the various inventions described
herein and in U.S. Provisional Patent Application No. 60/296,
450, filed on Jun. 8, 2001, entitled “ROBUST BURST
DETECTION ACQUISITION SYSTEM AND METHOD,”
U.S. Provisional Patent Application No. 60,296,455, filed on
Jun. 8,2001, entitled “RECEIVER HAVING INTEGRATED
SPECTRAL ANALYSIS CAPABILITY,” and U.S. patent
application Ser. No. 09/430,821, filed on Oct. 29, 1999, all of
which are incorporated herein by reference, may be combined
in various ways in a single system.

It will be understood by those skilled in the art that various
changes in form and details may be made therein without
departing from the spirit and scope of the invention as defined
in the appended claims. Thus, the breadth and scope of the
present invention should not be limited by any of the above-
described exemplary embodiments, but should be defined
only in accordance with the following claims and their
equivalents.

What is claimed is:

1. A shared-channel communication receiver, comprising:

means for performing a gain estimate based on a burst
preamble;

means for tracking a burst with an equalizer having a main
tap coefficient; and

means for adjusting said gain estimate based on said main
tap coefficient.

2. The receiver of claim 1, wherein said equalizer uses a

portion of a burst payload to derive said main tap coefficient.

3. The receiver of claim 1, further comprising:

means for acquiring said burst having said burst preamble
and a payload; and

means for extracting symbols from said burst.

4. The receiver of claim 3, wherein said equalizer uses said
payload to derive said main tap coefficient.

5. The receiver of claim 1, wherein said gain estimate is
adjusted based on a plurality of taps of said equalizer.

6. The receiver of claim 1, further comprising means for
estimating a channel signal-to-noise ratio based on said burst
preamble.

7. The receiver of claim 1, further comprising means for
estimating a carrier phase based on said burst preamble.

8. The receiver of claim 1, further comprising means for
looking-up a correction factor in a look-up table, wherein said
look-up table is based on a frequency error.

9. The receiver of claim 1, wherein said burst preamble
includes a constant-amplitude zero autocorrelation sequence
and a cyclic continuation prior to said constant-amplitude
zero autocorrelation sequence.

10. The receiver of claim 9, wherein said burst preamble
includes a second cyclic continuation after said constant-
amplitude zero autocorrelation sequence.

11. The receiver of claim 1, wherein said burst preamble
includes:

two back-to-back zero autocorrelation sequences;

a first cyclic continuation that includes two symbols prior
to said two back-to-back zero autocorrelation
sequences; and

a second cyclic continuation that includes two symbols
after said two back-to-back zero autocorrelation
sequences.

12. The receiver of claim 1, wherein said burst preamble

includes:

three back-to-back zero autocorrelation sequences;

a first cyclic continuation having two symbols prior to said
three back-to-back zero autocorrelation sequences; and

a second cyclic continuation having two symbols after said
three back-to-back zero autocorrelation sequences.
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13. The receiver of claim 3, wherein said burst includes at
least one constant-amplitude zero autocorrelation sequence
outside of said burst preamble.

14. The receiver of claim 3, further comprising means for
pre-filtering said burst.

15. The receiver of claim 3, wherein said means for extract-
ing symbols further includes means for adjusting a gain based
on said main tap coefficient.

16. A system for receiving communications over a shared
communications channel, comprising:

a feed forward equalizer having a main equalizer tap;

adecision feedback equalizer that adjusts a gain of a phase-

adjusted sample based on said main equalizer tap;
wherein said feed forward eciualizer outputs a forward
equalized sample; and

a tracking loop, including a derotator, that receives said

forward eciualized sample and outputs a phase-adjusted
symbol sample having a phase, wherein said phase is
adjusted by said derotator;

wherein said decision feedback eciualizer receives said

phase-adjusted symbol sample and outputs an eciual-
ized sample.

17. The system of claim 16, further comprising:

a filter that receives a digital signal from the shared com-

munications channel and outputs a sampled signal;

a preamble correlator that correlates a portion of said

sampled signal with a local replica of a preamble to
generate a correlation vector and a start of packet signal;
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a parameter estimator that receives said correlation vector
and said start of packet signal and outputs a frequency
estimate, an estimated gain, an estimated carrier phase
and a symbol timing estimate;

a second derotator that receives said sampled signal and
outputs a second derotated signal;

a buffer that receives said second derotated signal and
outputs a buffered second derotated signal;

a third derotator that receives said buffered second dero-
tated signal multiplied by said estimated gain, and out-
puts a third derotated signal; and

a symbol timing subsystem that receives said symbol tim-
ing estimate and said third derotated signal and outputs
a timed symbol sample;

wherein said feed forward equalizer receives said timed
symbol sample.

18. The system of claim 17, wherein a derivative of said
sampled signal has at least one of a zero autocorrelation
sequence and a constant-amplitude zero autocorrelation
sequence.

19. The system of claim 17, wherein said parameter esti-
mator compares phases of two consecutive correlation vec-
tors corresponding to zero autocorrelation sequences to pro-
duce said frequency estimate.
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