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57 ABSTRACT 

An apparatus and method of creating a digital library from 
audio data and Video imageS. The method includes the Steps 
of transcribing the audio data and marking the transcribed 
audio data with a first Set of time-Stamps and indexing the 
transcribed audio data. The method also includes the Steps of 
digitizing the video data and marking the digitized video 
data with a Second Set of time-Stamps related to the first Set 
of time-Stamps and Segmenting the digitized Video data into 
paragraphs according to a set of rules. The Steps of Storing 
the indexed audio data and the digitized Video data with their 
respective Sets of time-Stamps is also provided. The method 
also includes the Step of passing the transcribed audio data 
through a natural language interpreter before indexing the 
transcribed audio data. A method and apparatus for Search 
ing the digital library is disclosed. 

34 Claims, 8 Drawing Sheets 
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METHOD AND APPARATUS FOR CREATING 
A SEARCHABLE DIGITAL VIDEO LIBRARY 
AND A SYSTEMAND METHOD OF USING 

SUCH A LIBRARY 

BACKGROUND OF THE INVENTION 

1. Field of the Invention 
The present invention is directed generally to a digital 

Video library System, and more particularly, to a System 
integrating Speech recognition, image recognition and lan 
guage understanding for creating, indexing and Searching 
digital Video libraries. 

2. Description of the Background of the Invention 
Vast digital libraries will soon become available on the 

nation's Information Superhighway as a result of emerging 
multimedia technologies. Those libraries will have a pro 
found impact on the conduct of business, professional and 
personal activities. However, due to the Sheer Volume of 
information available, it is not Sufficient Simply to Store 
information and replay that information at a later date. That, 
in essence, is the concept of commercial Video-on-demand 
Services, and is relatively simple. New technology is needed 
to create, organize, and Search the vast data libraries, and 
then to retrieve and reuse them effectively. 

Currently, even though much of broadcast television is 
closed-captioned, the vast majority of the nation's Video and 
film assets are not. Because of this, any type of digital video 
library must employ Some type of audio transcription. A 
number of Sources of error and variability arise naturally in 
the context of the audio transcription. For example, broad 
cast Video productions, whether they are documentary Style 
interviews or theatrical productions, must record Speech 
from multiple speakers standing in different locations. This 
results in Speech Signal quality with different Signal to noise 
ratio properties. Further compounding the problem are the 
effects of different orientations of the Speakers and particular 
reverberation characteristics of the room. Still further, as the 
use of table top microphones, lapel microphones, and direc 
tional boom microphones traditionally used in broadcast 
Video productions are used as Sources for audio 
transcription, the variability arising from differences in 
microphone characteristics and differences in Signal to noise 
ratioS may significantly degrade performance. 

Additionally, in a typical video interview, people Speak 
fluently. This implies that many of the words are reduced or 
mispronounced. Lexical descriptions of pronunciations used 
in conventional Systems for dictation where careful articu 
lation is the norm will not work very well for Spontaneous, 
fluent speech. Moreover, unlike the Wall Street Journal 
dictation models wherein the domain limits the size and 
nature of the Vocabulary likely to be used in Sentences, audio 
transcriptions from broadcast Video generally tend not to 
have Such constraints. Accordingly, there are many problems 
and challenges presented by the audio portion of raw Vid 
eotaped footage which must be addressed by any digital 
library System. 

Likewise, there are problems and challenges presented by 
the Video portion of raw videotaped footage. For example, to 
effectively Store Video in digital format So that it is usable, 
the video should be segmented. Traditional methods of 
Segmenting involve counting frames prior to and following 
a time reference. That type of content-independent Segmen 
tation may result in Segments which are either not complete 
or contain two or more concepts or Scenes. Accordingly, any 
digital library System must be capable of Segmenting the 
Video into useful, comprehensible Segments based on con 
tent. 
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In addition to the problems associated with creating a 

digital video library, there are also problems with effectively 
accessing the library. The two Standard measures of perfor 
mance in information retrieval are recall and precision. 
Recall is the proportion of relevant documents that are 
actually retrieved, and precision is the proportion of 
retrieved documents that are actually relevant. These two 
measures may be traded off one for the other, and the goal 
of information retrieval is to maximize them both. 

Searching text typically involves Searches for keywords 
or, in Some circumstances, using limited natural language 
inferences. Current retrieval technology works well on tex 
tual material from newspapers, electronic archives and other 
Sources of grammatically correct and properly Spelled writ 
ten content. Furthermore, natural language queries allow 
Straight-forward description by the user of the Subject matter 
desired. However, the Video retrieval task, based upon 
Searching transcripts containing a finite Set of errors, chal 
lenges the State of the art. Even understanding a perfect 
transcription of the audio would be too complicated for 
current natural language technology. 
When the modality of communication, such as 

multimedia, has intrinsic temporal rates associated 
therewith, Such as audio or Video, Searching becomes 
increasingly difficult. For example, it takes 1000 hours to 
review 1000 hours of video. Detailed indexing of the video 
can aid that process. However, users often wish to peruse 
Video similar to the manner in which they flip through pages 
of a book. Unfortunately, mechanisms for doing So today are 
inadequate. Scanning by jumping a set number of frames 
may skip the target information completely. Conversely, 
accelerating the playback of motion video to twenty (20) 
times the normal rate presents information at an incompre 
hensible Speed. Even if users could comprehend Such accel 
erated playback, it would still take Six minutes to Scan two 
hours of Videotape. A two Second Scene would be presented 
in only one-tenth of a Second. 

Similar to the problems with Searching video, there is an 
analogous problem with Searching audio, only more acute. 
Playing audio fast during a Scan is impractical. Beyond one 
and one-half (1.5) to two (2) times the normal rate, audio 
becomes incomprehensible because the faster playback rates 
shift frequencies to the inaudible ranges. While digital Signal 
processing techniques are helpful to reduce frequency shifts, 
at high playback rates, those digital Signal processing tech 
niques present Soundbytes much like those of an analog 
Videodisc Scan. 

AS one can imagine, the problem is more complicated in 
a multimedia Scenario. The integration of text, audio, and 
Video thus presents many obstacles which must be over 
come. There are about one hundred fifty (150) spoken words 
per minute of an average interview Video. That translates to 
about nine thousand (9000) words for a one hour video, or 
roughly fifteen pages of text. A perSon Skimming the text 
may be able to find relevant Sections relatively quickly. 
However, if one was to Search for a specific topic contained 
in a Videotaped lecture, the Searching problem is acute. Even 
if a high playback rate of three (3) to four (4) times normal 
Speed was comprehensible, continuous play of audio and 
Video is a totally unacceptable Search mechanism. ASSuming 
the target information was half-way through a one hour 
video file, it would still take approximately seven (7) to ten 
(10) minutes to find. 

In complex, emerging fields Such as digital libraries and 
multimedia, it is not Surprising that most of today's appli 
cations have failed to take full advantage of the information 
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bandwidth much less the capabilities of a multimedia, digital 
Video and audio environment. Today's designs typically 
employ a VCR/Video-Phone view of multimedia. In this 
Simplistic model, Video and audio can be played, Stopped, 
their windows positioned on the Screen, and, possibly, 
manipulated in other ways Such as by displaying a graphic 
Synchronized to a temporal point in the multimedia object. 
This is the traditional analog interactive Video paradigm 
developed almost two decades ago. Rather than interactive 
Video, a much more appropriate term for this is “interrupted 
video. 

Today's interrupted Video paradigm ViewS multimedia 
objects more as text with a temporal dimension. Differences 
between motion video and other media, Such as text and Still 
images, are attributed to the fact that time is a parameter of 
Video and audio. However, in the hands of a user, every 
medium has a temporal nature. It takes time to read (process) 
a text document or a still image. In traditional media, each 
user absorbs the information at his or her own rate. One may 
even assimilate visual information holistically, that is, come 
to an understanding of complex information nearly at once. 

However, to convey almost any meaning at all, Video and 
audio must be played at a constant rate, the rate at which 
they were recorded. While, a user might accept Video and 
audio played back at 1.5 times normal Speed for a brief time, 
it is unlikely that users would accept long periods at Such 
playback rates. In fact, Studies show that there is Surprisingly 
Significant Sensitivity to altering playback fidelity. Even if 
users did accept accelerated playback, the information trans 
fer rate would still be principally controlled by the system. 

While video and audio data types are constant rate, 
continuous-time, the information contained in them is not. In 
fact, the granularity of the information content is Such that 
a one-half hour video may easily have one hundred Seman 
tically Separate chunks. The chunks may be linguistic or 
Visual in nature. They may range from Sentences to para 
graphs and from images to Scenes. 

Understanding the information contained in Video is 
essential to Successfully implementing a digital Video 
library. Returning a full one-half hour video when only one 
minute is relevant is much worse than returning a complete 
book, when only one chapter is needed. With a book, 
electronic or paper, tables of contents, indices, Skimming, 
and reading rates permit users to quickly find the chunks 
they need. Because the time to Scan a video cannot be 
dramatically Shorter than the real time of the Video, a digital 
Video library must give users just the material they need. 
Understanding the information content of Video enables not 
only finding the relevant material but presenting that infor 
mation in useful forms. 

Tools have been created to facilitate audio browsing 
which present graphical representations of the audio wave 
form to the user to aid identification of locations of interest. 
However, Studies have shown that those techniques are 
useful only for audio Segments under three minutes in 
duration. When Searching for a specific piece of information 
in hours of audio or Video, other Search mechanisms are 
required. For example, in previous research at Carnegie 
Mellon University, the assignee of the present invention, a 
multidimensional model of multimedia objects including 
text, images, digital audio, and digital Video was developed. 
With this model, developed during the Advanced Learning 
Technologies Project (the "ALT project”), variable granu 
larity knowledge about the domain, content, image Structure, 
and the appropriate use of the multimedia object is embed 
ded with the object. Based on a history of current interac 
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4 
tions (inputs and outputs), the System makes a judgement on 
what to display and how to display it. Techniques using Such 
asSociated abstract representations have been proposed as 
mechanisms to facilitate Searches of large digital Video and 
audio spaces. The ALT Project is described in Stevens, Next 
Generation Network and Operating System Requirements 
for Continuous Time Media, Springer-Verlag, 1992, which 
is hereby incorporated herein by reference. 

Moreover, Simply Searching for and viewing video clips 
from digital Video libraries, while useful, is not enough. 
Once users identify video objects of interest, they must be 
able to manipulate, organize, and reuse the video. Demon 
Strations abound where Students create Video documents by 
the association of video clips with text. While such demon 
Strations are positive Steps, the reuse of Video should be 
more than Simply editing a Selection and linking it to text. 
While some excellent tools are commercially available to 

edit digital Video, there are currently no tools available to 
intelligently aid in the creative design and use of Video 
though cinematic knowledge. One reason for the dearth of 
tools is the intrinsic, constant rate, temporal aspect of Video. 
Another is complexities involved in understanding the 
nature and interplay of Scene, framing, camera angle, and 
transition. Accordingly, the need exists to incorporate into 
any digital video editor intelligence with respect to cin 
ematic knowledge. This would make possible context Sen 
Sitive assistance in the reuse of Video and its composition 
into new forms. 

SUMMARY OF THE PRESENT INVENTION 

The present invention is directed to a method and appa 
ratus for creating a Searchable digital Video library and a 
System and method of using Such a library which overcomes 
the many obstacles found in the prior art. The method 
includes the Steps of transcribing audio data, marking the 
transcribed audio data with a first Set of time-Stamps and 
indexing the transcribed audio data. The Steps of digitizing 
the Video data and marking the digitized video data with a 
Second Set of time-Stamps related to the first Set of time 
Stamps are performed, prior to Segmenting the digitized 
Video data into paragraphs according to a set of rules. The 
method further includes the Step of Storing the indexed audio 
data and the digitized Video data with their respective Sets of 
time-Stamps. The method may also include the Step of 
passing the transcribed audio data through a natural lan 
guage interpreter before indexing the transcribed audio data. 
The natural language interpreter updates the Set of rules. The 
method may be practiced in a manner Such that the digital 
library is automatically created. 
The invention is also directed to an apparatus for creating 

a digital library from audio data and Video images. The 
apparatus includes means for transcribing the audio data and 
marking the transcribed audio data with a first Set of time 
Stamps, means for indexing the transcribed audio data, 
means for digitizing the Video data and marking the digitized 
Video data with a Second Set of time-Stamps related to the 
first Set of time-Stamps, means for Storing a set of rules and 
means for Segmenting the digitized Video data into para 
graphs according to the Stored Set of rules. Additionally, 
means for Storing the indexed audio data and the digitized 
Video data with their respective Sets of time-Stamps is 
provided. The apparatus additionally includes a natural 
language interpreter for processing the transcribed audio 
data before the audio data is indexed and for updating the Set 
of rules. 

The present invention is also directed to a method and 
apparatus which utilizes natural language techniques to 
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formulate Searches used to retrieve information from the 
digital library. The Search method may be implemented in a 
Stand alone mode or in a network environment. 

It is an object of the present invention to establish a 
System including a large, on-line, digital, Video library 
which allows for full-content and knowledge-based Search 
and retrieval Via desktop computers and data communication 
networks. It is a further object of the present invention to 
develop a method for creating and organizing the digital 
video library. It is yet a further object of the invention to 
develop techniques for effectively Searching and retrieving 
portions of the digital Video library in View of the unique 
demands presented by multimedia Systems. 

It is a feature of the present invention that speech, natural 
language and image understanding technologies are inte 
grated for the creation and exploration of the digital library. 
It is another feature of the present invention in that a high 
quality Speech recognition function is provided. Yet another 
feature of the present invention that a natural language 
understanding System is provided for a full-text Search and 
retrieval system. It is yet another feature of the invention that 
image understanding functions are provided for Segmenting 
Video Sequences. Finally, it is another feature that the System 
is adaptable to various network architectures. 

Advantages of the present invention are many. The digital 
Video library System provides full-content Search of, and 
retrieval from, an on-line database. Speech recognition 
functions provide a user-friendly human interface. Image 
understanding functions provide meaningful Video Segmen 
tation based on context and not merely time. Multimode 
Searching techniques provide for a more comprehensive and 
accurate Search. Various network architectures Support mul 
tiple users and increase Searching efficiency. Finally, the 
ability to acceSS unedited Video permits the further exploi 
tation of information. Those and other advantages and 
benefits will become apparent from the Detailed Description 
of the Preferred Embodiment hereinbelow. 

BRIEF DESCRIPTION OF THE DRAWINGS 

The various objects, advantages, and novel features of the 
present invention will be described, by way of example only, 
in the following detailed description, when read in conjunc 
tion with the appended drawings, in which: 

FIG. 1 is block diagram illustrating an overview of the 
method for creating a Searchable, digital, Video library and 
of a System for the use or exploration thereof according to 
the teachings of the present invention; 

FIG. 2 is a flow chart illustrating the processing flow used 
for the creation of the digital Video database; 

FIG. 3A is a flow chart illustrating one implementation of 
the audio transcription function illustrated in FIG. 2; 

FIG. 3B is a flow chart illustrating one implementation of 
the natural language interpretation function illustrated in 
FIG. 2; 

FIG. 4 is a Schematic diagram illustrating one implemen 
tation of the data and networking architecture of the present 
invention; and 

FIG. 5 is a Schematic diagram illustrating one implemen 
tation of an on-line digital Video library communication 
Structure. 

FIG. 6 is an example of the integration of several tech 
niques involved in Video Segmentation. 

FIG. A-1 is an example of a computer Screen showing 
icons presented in response to a Search request; and 

FIG. A-2 is an example of Video paragraphing as defined 
in the present invention. 
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6 
DETAILED DESCRIPTION OF THE 

PREFERRED EMBODIMENT 

System Overview 
With reference to FIG. 1, there is shown an overview of 

a digital Video library System, generally referred to by the 
numeral 10, constructed according to the present invention. 
Like reference numerals will be used among the various 
figures to denote like elements. In FIG. 1, the digital video 
library system 10 is shown to have two portions 12, 14. The 
offline portion 12 involves the creation of a digital library 
36. The online portion 14 includes the functions used in the 
exploration of the digital library 36. As used herein, the term 
digital video library system 10 refers to the entire system, 
while the term digital library refers to the database 36 
created by the offline portion 12. 
The offline portion 12 receives raw video material 16 

comprising audio data 18 and video data 20. The raw video 
material 16 may include audio-video from any one or a 
number of various sources. It is preferable that the raw video 
material 16 incorporates not only television footage 22, but 
also the unedited Source materials, shown generally as extra 
footage 24, from which the television footage 22 was 
derived. Such extra footage 24 enriches the digital library 36 
Significantly Such that the raw Video material 16 may be used 
as reference resources and for uses other than those origi 
nally intended. The extra footage 24 also enlarges the 
amount of raw video material 16 Significantly. For example, 
typical source footage runs fifty (50) to one hundred (100) 
times longer than the corresponding broadcast television 
footage 22. By way of further example, an interview with 
Arthur C. Clarke for the “Space Age” series, described in 
detail in the Operational Summary hereinbelow, resulted in 
two minutes of airtime even though over four hours of 
Videotape were created during the interview. Finally, new 
Video footage 26 not created for broadcast television may 
also be included. 

Raw material could also include pure text, audio only, or 
video only. 

The audio data 18 is subjected to the functions of speech 
and language interpretation 28 and Speech and language 
indexing 30, each of which will be described in greater detail 
herein. The video data 20 is subjected to the functions of 
Video Segmentation 32 and Video compression 34, which 
will also be described in greater detail herein. The resultant 
digital library 36 includes indexed, text transcripts of audio 
data 38, and Segmented, compressed, audio/video data 40. 
The digital library may also include indexed text and Seg 
mented compressed video data. The digital library 36 is the 
output of the offline portion 12 of the digital video library 
system 10. It is the digital library 36 which is used by the 
online portion 14 and which, in a commercial environment, 
is accessed or otherwise made available to users. 

Turning now to the online portion 14 of the digital video 
library system 10, the digital library 36 is made available to 
a user workstation 42. The workstation 42 preferably rec 
ognizes both voice commands and textual natural language 
queries, either of which will invoke a natural language 
Search function 129. Through an interactive Video Segmen 
tation function 46, video segments 48 are retrieved from 
digital library 36. The video segments 48 may be viewed at 
the workstation 42 and selectively stored for future use. 
The reader will understand that the offline portion 12 of 

the system 10 may be implemented in software and run on 
a 150 MIPS DEC Alpha workstation or other similar 
machine to automatically generate the digital library 36. 
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Once the digital library 36 is created in accordance with the 
teachings of the present invention, it may be Stored in any 
conventional Storage media. The online portion 14 of the 
system 10 may be implemented in software and run on 
various different machines having access to digital library 36 
through various network configurations as described here 
inbelow. Alternatively, the “online” portion may be imple 
mented in a Standalone mode, although the networked 
environment would allow for much greater access to the 
digital library 36. 

Creation of the Digital Library 
Content is conveyed in both narrative (speech and 

language) and image. Only by the collaborative interaction 
of image, Speech, and natural language understanding tech 
nology can the present invention automatically populate, 
Segment, index, and Search diverse Video collections with 
Satisfactory recall and precision our approach uniquely 
compensates for problems of interpretation and Search in 
error-full and ambiguous data environments. 

Image understanding plays a critical role in organizing, 
Searching, and reusing digital Video. The digital video 
library System 10 must annotate digital video automatically 
by Speech and language understanding, as well as by using 
other textual data that has been associated with the Video. 
Spoken words or Sentences should be attached to their 
asSociated frames. The traditional database Search by 
keywords, where images are only referenced, but not 
directly Searched for, is not appropriate or useful for our 
digital library system 10. Rather, digital video itself must be 
Segmented, Searched for, manipulated, and presented for 
Similarity matching, parallel presentation, and context sizing 
while preserving image content. 

The integration of Speech recognition, natural language 
processing, and image understanding technologies enables a 
digital library 36 to be created which supports the intelligent 
Searching of large corpora of digital video and audio. 

Audio Transcription & Time Stamping Function 27 
With reference to FIG. 2, it is seen that the speech and 

language interpretation function 28 of FIG. 1 is imple 
mented by an audio transcription and time Stamping function 
27 and a natural language interpretation function 29. The 
audio transcription portion of the audio transcription and 
time Stamping function 27 operates on a digitized version of 
the audio data 18 using known techniques in automated 
Speech recognition to transcribe narratives and dialogues 
automatically. For example, the Sphinx-II Speech recogni 
tion system may preferably be used. The Sphinx-II system is 
a large-vocabulary, Speaker-independent, continuous speech 
recognizer developed at Carnegie Mellon University. The 
Sphinx-II System currently uses a vocabulary of approxi 
mately 20,000 words to recognize connected Spoken utter 
ances from many different Speakers. The Sphinx-II speech 
recognizer System is described in more detail in Huang, The 
SPHINX-II Speech Recognition System, An Overview, 
Computer and Speech Language, (1993) which is hereby 
incorporated herein by reference. However, as will be appre 
ciated by those skilled in the art, other transcription methods 
may be employed, including human transcription or, in the 
case of closed captioned programs, merely using the cap 
tions from the programs as is. The transcript generated by 
the audio transcription portion of function 27 need not be 
viewed by users, and may be hidden therefrom. 

Improvements in the error rate may be anticipated as 
much of the Video footage useful for educational applica 
tions will typically be of high audio quality and will be 
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narrated by trained professionals which facilitates lower 
error transcriptions. However, because of the anticipated 
Size of Video libraries, a larger vocabulary is anticipated. By 
itself, the video library's larger vocabulary may tend to 
degrade recognition rate and increase errors. In response, 
Several innovative techniques have been developed and are 
exploited to reduce errors in the audio transcription function. 
The use of program-Specific information, Such as topic 

based lexicons and interest-ranked word lists are preferably 
employed by the audio transcription portion of function 27. 
Word hypotheses are improved by using known adaptive, 
"long-distance’ language models. Moreover, multi-pass rec 
ognition processing is performed Such that multi-Sentence 
contexts may be considered. 

Additionally, the transcript will be time-Stamped by func 
tion 27 using any known technique for applying a time 
Stamp. The audio time Stamps will be aligned with time 
Stamps associated with the processed Video for Subsequent 
retrieval as discussed below. 

We expect our digital video library system 10 will tolerate 
higher error rates than those that would be required to 
produce a human-readable transcript. Also, on-line Scripts 
and closed-captioning, where available, may preferably be 
used to provide base Vocabularies for recognition and 
Searchable texts. 

In a preferred embodiment, the audio transcription portion 
of function 27 generally processes an utterance in four 
known steps as illustrated in FIG. 3A. The first step, 
represented by box 52, is a forward time-synchronous pass 
using between-word Senonic Semi-continuous acoustic mod 
els with phone-dependent codebooks and a bigram language 
model. The forward time-synchronous pass function 52 
produces a Set of possible word occurrences, with each word 
occurrence having one start time and multiple possible end 
times. A reverse time-synchronous pass function 54 using 
the same System configuration is then performed. The result 
of the reverse time-synchronous pass function 54 is multiple 
possible begin times for each end time predicted in the 
forward time-synchronous pass 52. At Step 56, an approxi 
mate A* algorithm is used to generate the Set of N-best 
hypotheses for the utterance from the results of the forward 
time-synchronous pass 52 and reverse time-synchronous 
pass 54. Any one of a number of language models can be 
applied at step 56. We prefer that the default be a trigram 
language model. This approximate A* algorithm is not 
guaranteed to produce the best-scoring hypothesis first. 
Finally, at Step 58, the best-scoring hypothesis is Selected 
from among the N-best list produced. The best-scoring 
hypothesis is output from step 58 as the output from the 
audio transcription function 27. The time-Stamped tran 
Scripts thus generated are passed to the natural language 
interpretation function 29 described below. 
The audio transcription portion of function 27 may 

address many of the sources of error and variability which 
naturally arise. For example, with respect to the problem 
posed by multiple signal to noise ratios, the audio transcrip 
tion function uses signal adaptation techniques, including 
preprocessing and early detection of Signals, which auto 
matically correct for such variability. With respect to the 
problem caused by the multiple unknown microphones, the 
audio transcription function may utilize dynamic micro 
phone adaptation techniques to reduce the error without 
having to retrain for the new microphone. With respect to the 
problems associated with fluent Speech, at present the only 
known technique is for manual adaptation of the lexicon 
using knowledgeable linguists. The audio transcription por 
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tion of function 27 may employ known expert System 
techniques to formulate a task domain based on the knowl 
edge of Such linguists So that automatic pronunciation 
learning can take place. 
With respect to problems associated with expanded 

Vocabularies, our research in long distance language models 
indicates that a twenty (20) to thirty (30) percent improve 
ment in accuracy may be realized by dynamically adapting 
the vocabulary based on words that have recently been 
observed in prior utterances. In addition, most broadcast 
Video programs have significant descriptive text available. 
These include early descriptions of the program design 
called treatments, working Scripts, abstracts describing the 
program, and captions. In combination, those resources 
provide valuable additions to dictionaries used by the audio 
transcription function. 

Because the creation portion 12 of the digital video library 
System 10 is typically performed off-line, processing time 
may be traded for higher accuracy, thereby permitting the 
use of larger, continuously expanding dictionaries and more 
computational intensive language models. We estimate that 
the error rates achievable by our techniques, even with the 
increased Vocabulary requirements, will approach twelve 
(12) to fifteen (15) percent and, with advances in computer 
technology, Search technology and Speech processing 
techniques, five (5) to Six (6) percent. 

Natural Language Interpretation 29 
Natural language processing is used in two parts of the 

digital video library system 10, in the offline portion 12 for 
creating a final transcript which is used in the creation of the 
indexed text transcription of audio 38, and in the online 
portion 14 for the formulation of natural language Search 
queries 129, shown in FIG. 1. While existing retrieval 
research typically focuses on newspapers, electronic 
archives, and other Sources of “clean' documents, natural 
language queries, as opposed to complex query languages, 
permit Straight-forward description of the material 
described. 

The natural language interpretation function 29 performs 
several known Subfunctions. The first is called "Summari 
zation 150 in FIG. 3B wherein, by analyzing the words in 
the audio track for each visual paragraph (the concept of a 
“visual paragraph' is described in the Section entitled 
Content-Based Image Understanding hereinbelow), the Sub 
ject area and theme of the narrative for that Video paragraph 
is determined. Summarization may be used to generate 
headlines or Summaries of each video paragraph or Segment 
for use in the creation of icons, tables of contents, or 
indexing. 

The second function is defined as “tagging”. 152 wherein 
using data extraction techniques known in the art, the names 
of people, places, companies, organizations and other enti 
ties mentioned in the Sound track may be determined. This 
will allow the user to find all references to a particular entity 
with a single query. 

The third function is transcript correction 154. Using 
Semantic and Syntactic constraints, combined with a pho 
netic knowledge base, which may, for example, be the 
Sphinx-II dictionary or an analogous dictionary from 
another audio transcription function, recognition of certain 
errors and correction of Such errorS is achieved. Thus, the 
transcript correction function 154 is capable of automati 
cally generating final transcripts of the audio with Speech 
recognition errors corrected. 

Our natural language interpreting functions 29, 129 are 
based on known techniques and may, for example, apply 
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Statistical techniqueS or expert Systems. For example, a 
natural language interpreting function 29 is embodied in the 
Scout system developed at Carnegie Mellon University. 
Other natural language interpreters or processors are known 
in the art and may be employed therefor. The Scout system 
is a full-text information Storage and retrieval System that 
also Serves as a testbed for information retrieval and data 
extraction technology. The natural language interpretation 
function 29 may also be applied to the transcripts generated 
by the audio transcription and time Stamping function 27 to 
identify keywords. Because processing at this point occurs 
offline, the natural language interpretation function 29 has 
the advantage of more processing time which fosters under 
Standing and allows the correction of transcription errors. 
Our natural language interpretation function 29 resolves 

Several deficiencies in the art. First, the natural language 
interpretation function 29 enhances pattern matching and 
parsing to recover from and correct errors in the token String. 
Using the phonetic Similarity measures produced by the 
audio transcription portion of function 27, a graded String 
Similarity measure is used to retrieve and rank partial 
matches. 

A baseline measurement System has been designed to 
address the issue of the inadequacy of current retrieval 
algorithms. We first document the retrieval algorithms 
performance on transcribed Video. A test collection of que 
ries and relevant video segments from the digital library 36 
are created. Using manual methods we establish the relevant 
set of video segments 48 from the digital library 36. We then 
use the test collection to evaluate the retrieval performance 
of our existing retrieval algorithms in terms of recall and 
precision. 
The results of the baseline performance test may be used 

to improve the natural language interpretation function 29 
by elaborating on current pattern Sets, rules, grammars and 
lexicons to cover the additional complexity of Spoken lan 
guage by using large, data-driven grammars. To provide 
efficient implementation and high development rates, we use 
regular expression approximations to the context free gram 
mars typically used for natural language. By extending this 
technique to an automatically recognized audio track, 
acceptable levels of recall and precision in Video Scene 
retrieval are realized. 
The results of the baseline performance test may also be 

used to improve the audio transcription portion of function 
27 So that basic pattern matching and parsing algorithms are 
more robust and function in Spite of lower level recognition 
errors by using a minimal divergence criterion for choosing 
between ambiguous interpretations of the spoken utterance. 
For example, CMU’s SCOUT text retrieval system uses a 
partial match algorithm to recognize misspelled words in 
teXtS. 

We extend the existing algorithm to match in phonetic 
Space as well as textual. For example, in one of our training 
Videotapes, an Arthur Clarke interview, Clarke uses the 
phrase “self-fulfilling prophecies.” In our early prototypes of 
the digital video library system 10, because of the limited 
vocabulary of the audio transcription portion of function 27, 
the audio transcription portion of function 27 created the 
term “self-fulfilling profit seize”. To maintain high perfor 
mance recall, Video Segments must be retrieved in spite of 
Such mistranscriptions. 
A natural language query is converted in phonetic Space 

as follows: 
Query: P R AA1 FAH0 S IY0 Z - “prophecy” 
Data: P R AA1 FAH0 T S IY1 Z - “profit seize” 
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which deviate only by one insertion (T) and one change in 
stress (IY0 to IY1). Such a technique permits the retrieval of 
“Self-fulfilling prophecies' and its phonetic equivalent of 
“self-fulfilling profit seize.” 

Boolean and vector-space models of information retrieval 
have been applied to the digital video library system 10. A 
test collection to measure recall and precision, and establish 
a base line performance level is also provided for evaluation 
of the digital video library system 10. Users are provided 
options for ordering the returned set of “hits,” and for 
limiting the size of the hits as well. 
AS illustrated in FIG. 2, the use of the natural language 

interpretation function 29 extends to the paragraphing func 
tion 33 for the video data 20. A set of rules 37 are created 
and updated by the natural language interpretation function 
27. Those rules 37 are applied to the paragraphing function 
33. The paragraphing function 33 will be described in more 
detail herein below. 

Also, the automatic Summarization of retrieved material 
to build a module that assembles the Video Segment into a 
Single user-oriented Video Sequence is provided by the 
natural language interpreter 29. 

Speech and Language Indexing 30 
Continuing with reference to FIGS. 1 and 2, the speech 

and language indexing function 30 is applied to the final 
transcript produced by the natural language interpretation 
function 29. The indexing function 30 uses techniques 
generally known in the art. For example, an inverted indeX 
is created containing each term and a list of all locations 
where Such term is used. Pointers, i.e., the time Stamps, to 
each occurrence of the term are provided for retrieval. 

The Speech and natural language indexing function 30 is 
also useful in providing a Video skim capability. The Video 
Skim capability is the Subject of a U.S. Patent Application 
entitled “System and Method for Skimming Digital Audio/ 
Video Data”, being filed concurrently herewith in the names 
of Mauldin et al. (“Mauldin et al.”), and which is hereby 
incorporated herein by reference. Both the instant applica 
tion and the Mauldin et al. application are owned by the 
Same entity. 

The end result of the processing flow of the audio data 20 
is the indexed transcript of text 38 which is stored in the 
digital library 36 for future use. 

Content-Based Image Understanding 
With reference to FIGS. 1 and 2, the video data 20 will be 

processed in parallel, and, in certain circumstances as will be 
noted herein, in interaction with, the processing of the audio 
data 18 described above. The first step is generally referred 
to herein as content based Video Segmentation, shown as the 
dashed-line box 32 in FIG. 2, which is made up of three 
functions. The first function is performed in step 31 and is 
the digitization of the video data 20. The digitizing function 
31 is performed through techniques known by those skilled 
in the art. 

The Second function is the paragraphing function33. The 
use of the paragraphing function 33 avoids the time 
consuming, conventional procedure of reviewing a Video file 
frame-by-frame around an indeX entry point. To identify 
paragraph boundaries, the paragraphing function 33 locates 
beginning and end points for each shot, Scene, conversation, 
or the like by applying machine vision methods that interpret 
image Sequences. The paragraphing function 33 is able to 
track objects, even acroSS camera motions, to determine the 
limits of a Video paragraph. The resulting paragraphing or 
Segmentation proceSS is faster, more precise, and more easily 
controlled than any previous manual method. 

Each paragraph may be reasonably abstracted by a “rep 
resentative frame,” as is known, and thus be treated as a unit 
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12 
for context sizing or for an image content Search. At least a 
portion of this task is done by content-independent methods 
that detect big “image changes', for example, “key frame’ 
detection by changes in the Discrete Cosine Transform 
(“DCT") (compression) coefficient. 
We prefer, however, to use content-based Video para 

graphing methods because the ultimate user is interested in 
content or Subject retrieval, not simply image retrieval. The 
Subject of Video consists of both image content, textual 
content, and text transcripts of audio, the combination of 
which Specifies the Subject. The textual information attached 
is useful to quickly filter Video Segments locating potential 
items of interest. A Subsequent visual query, referring to 
image content, is preferred. For example, queries Such as 
“Find video with similar scenery,” “Find the same scene 
with different camera motion,” and "Find video with the 
Same perSon,” are important considerations from a user's 
perspective. Part of those queries may be realized by 
content-independent methods, Such as histogram compari 
SOS. 

Current efforts in image databases, in fact, are mostly 
based on indirect image Statistics methods. They fail to 
exploit language information associated with images or to 
deal with three dimensional events. 
We use multiple methods, either separately or in 

combination, for the paragraphing function 33. The first 
method is the use of comprehensive image Statistics for 
Segmentation and indexing. This initial Segmentation can be 
performed by monitoring coding coefficients, Such as DCT, 
and detecting fast changes in them. This analysis also allows 
for identifying the key frame(s) of each video paragraph; the 
key frame is usually at the beginning of the Visual Sentence 
and is relatively static. 
Once a Video paragraph is identified, We extract image 

features Such as color and shape and define those as 
attributes. A comprehensive Set of image Statistics Such as 
color histograms and Kalman filtering (edge detection) is 
created. While these are “indirect statistics” to image 
content, they have been proven to be useful in quickly 
comparing and categorizing images, and will be used at the 
time of retrieval. 
We prefer the concurrent use of image, Speech and natural 

language information. In addition to image properties, other 
cues, Such as Speaker changes, timing of audio and/or 
background music, and changes in content of Spoken words 
can be used for reliable segmentation. FIG. 6 illustrates how 
the information previously identified may be used to 
increase the reliability of Segmentation. AS Seen in FIG. 6, 
the coincidence in change in the histogram, Scene change 
information, and audio information, combine to increase the 
reliability in determining the boundaries of Video paragraph 
1. 

FIG. A-2 is an example where keywords are used to locate 
items of interest and then image Statistics (motion) are used 
to Select representative figures of the Video paragraph. In this 
example, the words, “toy” and “kinex” have been used as 
keywords. The initial and closing frames have Similar color 
and textual properties. Structural and temporal relationships 
between Video Segments can also be extracted and indexed. 

The next integrated method to determine Video paragraph 
boundaries is two-dimensional camera and object motion. 
With this method, visual Segmentation is based on interpret 
ing and following Smooth camera motions Such as Zooming, 
panning, and forward camera motion. Examples include the 
Surveying of large panoramic Scene, the focusing of a 
Viewer's attention on a Small area within a larger Scene, or 
a moving camera mounted on a vehicle Such as a boat or 
airplane. 
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A more important kind of Video Segment is defined not by 
motion of the camera, but by motion or action of the objects 
being viewed. For example, in an interview Segment, once 
the interviewer or interviewee has been located by Speech 
recognition, the user may desire to see the entire clip 
containing the interview with this Same perSon. This can be 
done by looking forward or backward in the video Sequence 
to locate the frame at which this perSon appeared or disap 
peared from the Scene. 
We also prefer to incorporate developing techniques to 

track high degree-of-freedom objects, Such as a human hand 
(27 degrees of freedom), based on “deformable templates” 
and the Extended Kalman Filtering method. Such a tech 
nique provides a tool to the Video database to track and 
classify motions of highly articulated objects. 

Segmenting Video by appearance of a particular object or 
a combination object, known by those skilled in the art as 
“object presence', is also a powerful tool and we prefer to 
include methods for doing so. While this is difficult for a 
general three-dimensional object for arbitrary location and 
orientation, the technique of the KLTransform has proven to 
work to detect a particular class of object. Among object 
presence, human content is the most important and common 
case of object presence detection. 

Finally, the techniques discussed So far are applicable to 
two-dimensional Scenes, but Video represents mostly three 
dimensional shape and motion. Adding a three-dimensional 
understanding capability to the paragraphing function 33 
greatly expands the abilities of the Video Segmentation 
function 32. The "factorization' approach, pioneered at 
Carnegie Mellon University, is used in our approach wherein 
in each image frame an “interest point” operator finds 
numerous corner points and others in the image that lend 
themselves to unambiguous matching from frame to frame. 
All the coordinates of these interest points, in all frames of 
the Video Sequence, are put into a large array of data. Based 
on a linear algebra theory, it has been proven that this 
array-whose rank is always equal to or less than 3-can 
be decomposed into shape and motion information, i.e., 
Observations=ShapexMotion. 

Other rules 37 generated by the natural language inter 
pretation function 29 may be useful to content-based para 
graphing. For example, keywords of “football” and "Score 
board” may be used to identify Scenes in a football game 
Segmented by the showing of the Scoreboard. 

It will be understood by those skilled in the art that any of 
those methods may be employed in the paragraphing func 
tion 33, either separately or in combination with other 
methods, to meet the requirements of particular applications. 
Moreover, the present invention also provides the ability to 
Segment based on time. 

After the paragraphing function 33 is complete, icons are 
generated by function 35. Icons are a combination of text 
and Video, either Still or motion, which are created for 
Subsequent presentation to the user performing a Search. 
Visual icons are preferably a representative of a Video 
paragraph or multiple contiguous Video paragraphs relating 
to the same Subject matter. Examples of icons retrieved in a 
search are shown in FIG. A-1. 

Both Still iconic and miconic representations of Video 
information can easily mislead a user. For example, a Search 
for Video Sequences related to transportation of goods during 
the early 1800's may return twenty (20) relevant items. If the 
first twenty (20) Seconds of Several Sequences are “talking 
head' introductions, icons and micons provide no significant 
visual clue about the content of the video; the information 
after the introduction may or may not be interesting to the 
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user. However, intelligent moving icons, imicons, Overcome 
Some of those limitations. Image Segmentation technology 
creates Short Sequences that more closely map to the Visual 
information contained in the Video Stream. Several frames 
from each new Scene are used to create the imicon. This 
technique allows for the inclusion of all relevant image 
information in the video and the elimination of redundant 
data. See Mauldin et al. 

For a Video containing only one Scene with little motion, 
a micon may be the appropriate representation. If video data 
contains a single Scene but with considerable motion 
content, or multiple Scenes, the imicon is preferred to 
display the Visual content. To determine the imicon content, 
the optimal number of frames needed to represent a Scene, 
the optimal frame rate, and the requisite number of Scenes 
needed for Video representation are determined. Heuristics 
for imicon creation are data dependent and take into account 
Such factors as the number of unique Scenes needed to 
represent a video chunk; the effect of camera movements 
and Subject movements on the Selection of images to rep 
resent each Scene, and the best rate of presentation of 
images. Because the human visual System is adept at quickly 
finding a desired piece of information, the Simultaneous 
presentation of intelligently created motion icons will let the 
user act as a filter to choose high interest material. 
We prefer that process flow continues with the video 

compression function 34, although the Video compression 
function 34 may occur at various positions within FIG. 2. 
The Video compression function 34 may utilize any avail 
able commercial compression formats, for example, Intel's 
DVI(R) compression format, thus requiring only 10 Mbytes 
per Source Video minute to achieve VHS quality playback, 
i.e., 256x260 pixels. Other compression techniques may also 
be employed which, may, for example, be MPEG or MPEG 
II. Using compression techniques, we anticipate that one 
terabyte of storage will hold over 1000 hours of segmented 
compressed video 40. 

Exploration of the Digital Library 
Interactive User Stations 42 

The interactive user stations 42, see FIG. 1, are preferably 
instrumented to keep a global history of each Session. That 
includes all of the original digitized Speech from the Session, 
the associated text as recognized by audio transcription 
portion of function 27, the queries generated by the natural 
language processing function 129 and the Video objects 
returned, compositions created by users, and a log of all user 
interactions. In essence, the Station 42 will be able to replay 
a complete Session permitting both comprehensive Statistical 
Studies and detailed individual protocol analyses. 
An initial query may be textual, entered either through the 

keyboard, mouse, or spoken words entered via microphone 
at WorkStation 42 and recognized by the online portion 14 of 
the System 10. Subsequent refinements of the query, or new, 
related queries may relate to visual attributes Such as, “find 
me Scenes with Similar visual backgrounds.” The natural 
language processing function 129 exemplified by the Scout 
program is used to process a query in much the same way as 
the natural language processing function 29 is used to 
process transcribed audio. 
The interactive user Stations 42 include the option to 

adjust the duration and information content of retrieved 
Segments and to adjust the information playback rate as well 
as to adjust the media playback rate. When a Search contains 
many hits, the System 10 will Simultaneously present icons 
and imicons (full motion intelligently chosen sequences) 
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along with their text Summarization. That is defined as 
parallel presentation. Functionality will be provided to 
enable the user to extract Subsequences from the delivered 
Segments and reuse them for other purposes in various forms 
and applications. Each will be described in greater detail 
below. 

The interactive user station 42 allows the user to adjust the 
“size” (duration) of the retrieved video/audio segments for 
playback. Here, the size may be time duration, but more 
likely will be abstract chunks where information complexity 
or type will be the determining measure. The appropriate 
metaphors to use when the Size the user is adjusting is 
abstract are chosen based on empirical Studies. For example, 
it is well known that higher production value Video has more 
shot changes per minute than, for example, a Videotaped 
lecture. And although it is visually richer, it may be linguis 
tically leSS dense. The unique balance of linguistic and 
Visual information density appropriate for different types of 
Video information is Selected. 

The interactive user Station 42 allows the user to interac 
tively control the rate of playback of a given retrieved 
Segment, at the expense of both informational and percep 
tual quality. Video paragraphing will aid this process. By 
knowing where Scenes begin and end, high Speed Scans of 
digital Video Segments 48 may be performed by presenting 
quick representations of Scenes. This method is an improve 
ment over jumping a Set number of frames, Since Scene 
changes often reflect changes in organization of the Video 
much like Sections in a book. Empirical Studies may be used 
to determine the rate of Scene presentation that best enables 
user Searches and the differences, if any, between image 
Selection for optimal Scans and image Selection for the 
creation of imicons. 

Once users identify Video objects of interest, they need to 
be able to manipulate, organize and reuse the Video. Even 
the simple task of editing is far from trivial. To effectively 
reuse Video assets, the user needs to combine text, images, 
Video and audio in new and creative ways. The tools may be 
developed for the user workstation 42 to provide expert 
assistance in cinematic knowledge to integrate the output of 
the content based video segmentation function 32 with the 
language interpretation function 28 to create Semantic 
understanding of the Video. For example, the contraposition 
of a high quality, Visually rich presentation edited together 
with a Selection from a college lecture on the same material 
may be inappropriate. However, developing a composition 
where the lecture material is available for those interested, 
but not automatically presented, may create a richer learning 
environment. With deep understanding of the video 
materials, it is possible to more intelligently assist in their 
CSC. 

Data and Networking Architecture 
Fundamental to providing continuous media from remote 

Storage Systems is the ability to Sustain Sufficient data rates 
from the file system and over the network to provide 
pleasing audio and Video fidelity in terms of frame rate, Size 
and resolution on playback for the receiving user. The ability 
to continuously transmit thirty (30) frames/second of full 
color, full-screen, television quality images even to a single 
user is limited by network bandwidth and allocation. For 
current compression ratioS yielding 10 Mbytes/min. of 
video, a minimum 1.3 Mbit/s dedicated link would be 
required to deliver continuous video. Those rates are not 
commonly achievable across the Internet. The ability to 
deliver the Same Video material Simultaneously to a number 
of users is further limited by disk transfer rates. 
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With reference to FIG. 4, there is shown a preferred 

network architecture, generally referred to by the numeral 
80. There is a digital video/audio archive 82 with a hierar 
chically cached file System, with all the digitized data at the 
top “media-server' node 84 and caches of most recently 
accessed media at the “site-server' nodes 88, 90, 92. We 
prefer that the top media Server node 84 have a capacity of 
one (1) terabyte and each of the site-server nodes 88,90 and 
92 have a capacity of forty (40) to fifty (50) gigabytes. The 
top media-server node 84 is preferably implemented as a 
multi-threaded user-level process on a UNIX system, with a 
fixed priority policy Scheduler which communicates con 
tinuous media data on Standard network connections. 

The “site-server' nodes 88,90, 92 sit on a local area net 
with end-user local interactive user workstation 42. The 
Searchable portions of the digital library 36, i.e., the tran 
Scripts and auxiliary indices, exist at the top media Server 
node 84 and are replicated at each site. This permits the 
CPU-intensive searches to be performed locally, and media 
to be served either from the local cache at the site-servers 88, 
90, 92 or from the top media server node 84. The local 
interactive user WorkStation 42 can either be a buffering 
display Station, a display plus Search engine, or the latter 
plus media cache 98 with a capacity of approximately 2 
gigabytes, depending upon its size and performance class. 
Caching Strategies will be implemented through Standard file 
System implementations, for example Transarc's Andrew 
File System (AFS) and OSF’s industry standard Distributed 
File System (DFS). Concentration of viewing strongly influ 
ences System architecture and thus is application dependent. 
Where and how much to cache depend on “locality of 
Viewing.” 

The stringent continuous stream network data require 
ments typical for Video-on-demand Systems is relaxed in our 
library System implementation because (1) most Sequences 
are anticipated to be short (less than two minutes), (2) many 
will be delivered from the locally networked site-server 
nodes 88,90, 92, and (3) the data display is always per 
formed from the buffer constituted by the user's local disk, 
typically 1-2 gigabytes in early System deployments. Cur 
rently used compression techniques reduce the data require 
ment to approximately 10 Mbytes/minute of video. 
The digital video library system 10 is architecture inde 

pendent Such that forthcoming commercial file Systems 
Structured for delivery of continuous media and Video-on 
demand which addresses the problems of achieving Suffi 
cient Server performance, including the use of disk Striping 
on disk arrays to enable continuous delivery to large num 
bers of Simultaneous viewers of the same material, may be 
incorporated when available. A one (1) to ten (10) terabyte 
archive 82 is representative of anticipated commercial envi 
rOnmentS. 

The server network 80 may transmit to other sites via 
commercially available Switched multi-megabit data Service 
(SMDS) 99 at currently economically priced data rates (1.17 
Mbits/sec). Frame relay services (not shown) from 56 Kbps 
to 1.5 Mbps are also provided for remote satellite services. 
Communication interfaces to interface local interactive user 
workstation 42 Ethernet to the SMDS clouds 99 are in place. 
A key element of the on-line digital library is the com 

munication fabric, shown schematically as 100 in FIG. 5, 
through which media-servers 109 and satellite (user) nodes 
110 are interconnected. Traditional modem-based access 
over voice-grade phone lines is not adequate for this multi 
media application. The fabric 100 preferably has the fol 
lowing characteristics. First, communication preferably is 
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transparent to the user. Special-purpose hardware and Soft 
ware Support is preferably minimized in both Server and 
Slave nodes. Second, communication Services should pref 
erably be cost effective, implying that link capability 
(bandwidth) be scalable to match the needs of a given node. 
Server nodes 107, for example, require the highest band 
width because they are shared among a number of Satellite 
nodes 110. Finally, the deployment of a custom communi 
cation network must be avoided. The most cost-effective, 
and timely, Solution will build on communication Services 
already available or in field-test. A tele-commuting Wide 
Area Network (WAN) topology fabric 100 ideally suited for 
the on-line digital video library has been developed. 

The topology of the WAN we use is shown in FIG. 5. Two 
elements of the communication fabric are (1) use of Central 
Office Local-Area Networks (CO-LANs) 102 to provide 
unswitched data Services to WorkStations over digital Sub 
scriber loop technology 105 and (2) use of a Switched 
Multi-Megabit Data Service (SMDS) “cloud” 104 to inter 
connect the CO-LANs 102 and high-bandwidth server nodes 
107. 

High-bandwidth server nodes 107 are directly connected 
into the SMDS cloud 104 through a standard 1.17 Mbit/s 
access line 108. The SMDS infrastructure provides for 
higher bandwidth connections (from 4 Mbit/s through 34 
Mbit/s) should they be required. 

OPERATIONAL SUMMARY 

The following example explains the processing of the 
present invention in conjunction with a hypothetical Search. 
It is assumed that the digital library 36 has been created by 
the offline portion 12. 

Our Student begins by Speaking to the monitor, “I’ve got 
to put Something together on culture and Satellites. What are 
they?" 

Transparent to the user, the user WorkStation 42 has just 
performed highly accurate, Speaker independent, continuous 
Speech recognition on her query. The online portion of 14 of 
digital library System 10 then applies Sophisticated natural 
language processing functions 129 to understand the query 
and translate the query into retrieval commands to locate 
relevant portions of segmented compressed video 40. The 
Segmented compressed Video 40 is Searched using the asso 
ciated indexed transcripts of text 38. The appropriate Selec 
tion is further refined through Scene sizing developed by 
image understanding technology 32. 

Appearing on the Screen are Several icons, Some showing 
motion clips of the video contained, followed by text form 
ing an extended title/abstracts of the information contained 
in the video (see FIG. A-2). 
Making this possible, image processing helped Select 

representative Still imageS for icons and Sequences from 
Scenes for intelligent moving icons. Audio transcription 
functions 27 created transcripts which are used by the 
natural language function 29 to Summarize and abstract the 
Selections. 

Through either a mouse or a spoken command, the Student 
requests the Second icon. The Screen fills with a Video of 
Arthur Clarke describing how he did not try to patent 
communications Satellites, even though he was the first to 
describe them. Next the Student requests the third icon, and 
SeeS Villages in India that are using Satellite dishes to view 
educational programming. 

ASking to go back, Arthur Clarke reappears. Now, Speak 
ing directly to Clarke, she wonders if he has any thoughts on 

15 

25 

35 

40 

45 

50 

55 

60 

65 

18 
how his invention has shaped the World. Clarke, Speaking 
from his office, Starts talking about his childhood in England 
and how different the World was then. Using a skimming 
control She finds a particularly relevant Section to be 
included in her multimedia composition. 

Beyond the requisite Search and retrieval, to give our 
Student Such functionality requires image understanding to 
intelligently create Scenes and the ability to skim them. The 
Skimming function is described in Mauldin et al. 
The next day the Student gives her teacher access to her 

project. More than a simple presentation of a few video 
clips, Our Student has created a Video laboratory that can be 
explored and whose structure is itself indicative of the 
Student's understanding. 

Helping this Student be Successful are tools for building 
multimedia objects that include assistance in the language of 
cinema, appropriate use of Video, and structuring composi 
tion. Behind the Scenes the System has created a profile of 
how the video was used, distributing that information to the 
library's accounts. 
While the present invention has been described in con 

junction with preferred embodiments thereof, it will be 
understood that variations and changes in the details of the 
present invention as herein described and illustrated may be 
made by those skilled in the art without departing from the 
Spirit, principle and Scope of the present invention. 
Accordingly, it is expressly intended that all Such 
equivalents, variations and changes therefrom which fall 
within the principle and Scope of the present invention as 
described herein and defined in the claims be embraced 
thereby. 
What is claimed is: 
1. A method of creating an independent digital library 

from existing audio data and Video images comprising the 
Steps of 

transcribing Said audio data and marking Said transcribed 
audio data with a first Set of time-Stamps, 

indexing Said transcribed audio data; 
digitizing Said Video data and marking Said digitized 

Video data with a Second set of time-Stamps related to 
Said first Set of time-Stamps, 

Segmenting Said digitized Video data into Video para 
graphs according to a set of rules based upon Scene 
characterization of Said Video images and the process 
ing of Said audio data; and 

Storing Said indexed audio data and Said Segmented digi 
tized video data with their respective sets of time 
Stamps to create the digital library which can be 
accessed through Said indexed audio data without 
returning to the existing audio data and Video images. 

2. The method of claim 1 additionally comprising the Step 
of passing Said transcribed audio data through a natural 
language interpreter before indexing Said transcribed audio 
data. 

3. The method of claim 2 wherein Said natural language 
interpreter updates Said Set of rules. 

4. An apparatus for creating an independent digital library 
from existing audio data and Video images, comprising: 
means for transcribing Said audio data and marking Said 

transcribed audio data with a first Set of time-Stamps, 
means for indexing Said transcribed audio data; 
means for digitizing Said video data and marking Said 

digitized video data with a Second set of time-Stamps 
related to Said first Set of time-Stamps, 

means for Storing a set of rules based upon Scene char 
acterization of Said Video images and the processing of 
Said audio data; 
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means for Segmenting Said digitized video data into Video 
paragraphs according to Said Stored Set of rules, and 

means for Storing Said indexed audio data and Said 
Segmented digitized Video data with their respective 
Sets of time-Stamps to create the digital library which 
can be accessed through Said indexed audio data with 
out returning to the existing audio data and Video 
images. 

5. The apparatus of claim 4 additionally comprising 
natural language interpreter means for processing Said tran 
Scribed audio data before Said data is indexed. 

6. The apparatus of claim 4 wherein Said natural language 
interpreter means updates Said Set of rules. 

7. The method of claim 1 additionally comprising the step 
of generating a set of icons after Segmenting Said digitized 
Video data into Video paragraphs according to Said Set of 
rules. 

8. The method of claim 7 wherein said set of icons is a set 
of intelligent moving icons. 

9. The method of claim 8 wherein said set of intelligent 
moving icons is generated using data-dependent heuristics. 

10. The method of claim 1 additionally comprising the 
Step of compressing Said digitized Video data before Storing 
Said indexed audio data and Said digitized Video data with 
their respective Sets of time-Stamps. 

11. The method of claim 1 wherein the step of transcribing 
Said audio data and marking Said transcribed audio data with 
a first Set of time Stamps includes the Steps of: 

producing a set of possible word occurrences, with each 
word occurrence having a start time and a plurality of 
possible end times, 

producing a plurality of possible begin times for each of 
Said end times; 

generating a set of N-best hypotheses for Said audio data; 
and 

Selecting a best-scoring hypothesis from Said Set of N-best 
hypotheses to produce Said transcribed audio data. 

12. The method of claim 11 wherein said set of possible 
word occurrences is produced using a forward time Syn 
chronous pass function. 

13. The method of claim 11 wherein said plurality of 
possible begin times are produced using a reverse time 
Synchronous function. 

14. The method of claim 2 wherein the step of passing 
Said transcribed audio data through a natural language 
interpreter before indexing Said transcribed audio data 
includes the Steps of: 

Summarizing Said transcribed audio data; 
tagging Said transcribed audio data using data extraction 

techniques, and 
correcting Said tagged transcribed audio data using 

Semantic and Syntactic constraints and a phonetic 
knowledge base. 

15. The method of claim 1 wherein said digitized video 
data are Segmented into Video paragraphs using comprehen 
Sive image Statistic rules. 

16. The method of claim 1 wherein said digitized video 
data are Segmented into Video paragraphs using camera 
motion rules. 

17. The method of claim 1 wherein said digitized video 
data are Segmented into Video paragraphs using object 
motion rules. 

18. The method of claim 1 wherein said digitized video 
data are Segmented into Video paragraphs using deformable 
templates and filtering rules. 

19. The method of claim 1 wherein said digitized video 
data are Segmented into Video paragraphs using object 
presence rules. 
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20. The method of claim 1 wherein said digitized video 

data are Segmented into Video paragraphs using three 
dimensional understanding rules. 

21. The apparatus of claim 4 additionally comprising 
means for generating a Set of icons after Said digitized video 
data is Segmented into paragraphs according to Said Set of 
rules. 

22. The apparatus of claim 21 wherein Said Set of icons is 
a set of intelligent moving icons. 

23. The apparatus of claim 22 wherein Said means for 
generating Said Set of intelligent moving icons uses data 
dependent heuristics. 

24. The apparatus of claim 4 additionally comprising 
means for compressing Said digitized Video data before Said 
indexed audio data and Said digitized Video data are Stored 
with their respective Sets of time-Stamps. 

25. The apparatus of claim 4 wherein said means for 
transcribing Said audio data and marking Said transcribed 
audio data with a first Set of time Stamps comprises: 
means for producing a set of possible word occurrences, 

with each word occurrence having a start time and a 
plurality of possible end times, 

means for producing a plurality of possible begin times 
for each of Said end times, 

means for generating a set of N-best hypotheses for Said 
audio data; and 

means for Selecting a best-scoring hypothesis from Said 
set of N-best hypotheses to produce said transcribed 
audio data. 

26. The apparatus of claim 25 wherein said means for 
producing Said Set of possible word occurrences uses a 
forward time Synchronous pass function. 

27. The apparatus of claim 25 wherein said means for 
producing Said plurality of possible begin times uses a 
reverse time Synchronous function. 

28. The apparatus of claim 5 wherein said means for 
passing Said transcribed audio data through a natural lan 
guage interpreter before indexing Said transcribed audio data 
comprises: 
means for Summarizing Said transcribed audio data; 
means for tagging Said transcribed audio data using data 

extraction techniques, and 
means for correcting Said tagged transcribed audio data 

using Semantic and Syntactic constraints and a phonetic 
knowledge base. 

29. The apparatus of claim 4 wherein said means for 
Segmenting Said digitized video data into Video paragraphs 
uses comprehensive image Statistic rules. 

30. The apparatus of claim 4 wherein said means for 
Segmenting Said digitized video data into Video paragraphs 
uses camera motion rules. 

31. The apparatus of claim 4 wherein said means for 
Segmenting Said digitized video data into Video paragraphs 
uses object motion rules. 

32. The apparatus of claim 4 wherein Said means for 
Segmenting Said digitized video data into Video paragraphs 
uses deformable templates and an filtering rules. 

33. The apparatus of claim 4 wherein said means for 
Segmenting Said digitized video data into Video paragraphs 
uses object presence rules. 

34. The apparatus of claim 4 wherein said means for 
Segmenting Said digitized video data into Video paragraphs 
uses three-dimensional understanding rules. 
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