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APPARATUS AND METHOD FOR SPEECH 
TEXT TRANSMIT COMMUNICATION OVER 

DATA NETWORKS 

BACKGROUND OF THE INVENTION 

1. Field of Invention 

The invention pertains to an apparatus and method for 
providing real time communication over a data network. 

2. Description of Related Art 
With the ever increasing benefits of computerization to 

every day life, more people are logging-on to the Internet to 
obtain information and to communicate with other people 
around the World. This communication typically takes the 
form of textual messages Sent either by electronic mail, text 
messages Sent to other users currently logged-on to desig 
nated “chat rooms' or Sent through Internet messaging. 
These text messages must be manually input via a computer 
keyboard and sent to the other users as blocks of text. This 
causes a great delay in the transmission and reception of 
messages Since the Speed at which communication takes 
place is dependent on the users typing ability. 

Recently, Voice telephony Systems have been devised 
which use voice codes (coder/decoders) to achieve actual 
Voice communication over data networks. These Systems 
take Voice input signals, digitize these Signals, and encode 
them for transmission as digital data. This data is transmitted 
to a receiving Station where the coded data is decoded and 
output to the receiving party. These Systems are Straddled 
with Significant Sound degradation (delays and distortions) 
due to the asynchronous nature of the data network and the 
continuous Streaming of the data packets necessary for the 
transmission of actual voice data. The timing of the data 
packets used in Such voice telephony Systems requires large 
bandwidth and cannot tolerate undesirable delayS. 
Therefore, the use of Standard modem lines having Small 
bandwidths in Voice telephony Systems results in degrada 
tion of the reconstructed Sound. 

Furthermore, these voice telephony Systems do not allow 
for anonymity of the parties Since the party's actual Voice is 
transmitted. Such anonymity is generally valued by users of 
the Internet because it provides a Sense of privacy and 
Security. In addition, automatic documentation of conversa 
tions are not possible and the Voice telephony is limited to 
the particular languages spoken by the parties. Thus, new 
technology is needed to achieve acceptable voice commu 
nication over data networks. 

SUMMARY OF THE INVENTION 

The present invention is directed to an apparatus and 
method for providing Speech-text-transmit communication 
over data networks. With the present invention, Speech input 
Signals are converted into text data through the use of speech 
recognition and transmitted over a data network to a desig 
nated receiving party. The text data may be converted back 
into Speech output Signals at the receiving party's terminal. 
The Speech output Signals are obtained using a Synthesized 
Speech pattern. 

Since text data packets representing Speech are streaming 
at a lower data rate when compared with Voice telephony 
data packets, the transmission of the text data packets may 
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2 
be performed at a lower Speed and therefore a lower band 
width. Thus, a realtime continuous text Stream and Synthe 
sized Speech output may be realized using a lower data rate 
in data networks. In addition, the text data may be displayed 
to the receiving party or Stored in a Storage device for later 
review and reproduction. In this way, the communication 
may be documented. 

Further, the Speech pattern data of Synthesized speech 
used to output the converted text data may be designated by 
the Sending and/or receiving parties. In this way, the System 
is tailorable to the particular preferences of the parties 
involved in the communication. 

Further, the present invention provides an apparatus for 
translating the text data received in one language into text 
data of another language. In this way, communication may 
be facilitated in the parties own languages thereby reducing 
the chances of misinterpretation. 

BRIEF DESCRIPTION OF THE DRAWINGS 

The preferred embodiments of this invention are 
described in detail with reference to the following figures, 
wherein like numerals represent like elements, and wherein: 

FIG. 1 is a block diagram of a speech-text-transmit 
System; 

FIG. 2 is a block diagram of the subscriber terminal of 
FIG. 1; 

FIG. 3 is a block diagram of the Speech recognition device 
of FIG. 2; 

FIG. 4 is a block diagram of the text to speech conversion 
device of FIG. 3; 

FIG. 5 is a flowchart of the operation of the terminal 
controller of FIG. 2 when monitoring the output text buffer 
for text data to be output via the modem, 

FIG. 6 is a flowchart of the operation of the terminal 
controller of FIG. 2 when monitoring the input text buffer 
for text data received through the modem, 

FIG. 7 is a flowchart of the operation of the speech 
recognition device of FIG. 3; 

FIG. 8 is a flowchart of the operation of the text to speech 
conversion device of FIG. 2; and 

FIG. 9 is a block diagram of the speech recognition device 
with an additional language translation device. 

DETAILED DESCRIPTION OF PREFERRED 
EMBODIMENTS 

FIG. 1 is a block diagram of an exemplary embodiment of 
a speech-text-transmit (STT) system. The STT system 
includes a Subscriber terminal 100 and a Subscriber terminal 

110 in connection with a data network 150 through Internet 
Service Providers (ISPs) 105 and 115, for example. 
The data network 150 may be any type of data network 

used for communication and data transfer. Examples include 
the Internet, local area networks (LANs), wide area net 
works (WANs), and the like. For purposes of explanation of 
the present invention, the data network 150 is considered to 
be the Internet. 

The subscriber terminals 100 and 110 may be personal 
computers connected to the data network 150 via modem 
connections, computer terminals connected via a LAN or 
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WAN, WebTVTM devices, telephones (wired or wireless) 
connected to computing gateways with access to the 
Internet, and the like. For purposes of explanation of the 
present invention, Subscriber terminals 100 and 110 are 
considered to be personal computers connected to the data 
network via modem connections. 

With the present invention, when subscriber terminal 100 
wishes to communicate with Subscriber terminal 110, 
assuming both Subscriber terminals are logged onto the data 
network 150 through their respective ISPs 105 and 115, the 
subscriber terminal 100 designates Subscriber terminal 110 
as the recipient of further communications. The Subscriber 
terminal 100 may then initiate communication with Sub 
scriber terminal 110 via the data network 150 by receiving 
audio input Signals from the user and converting them into 
textual representations of the audio input signals. These 
textual representations are then Sent to the Subscriber ter 
minal 110 via the data network 150. Subscriber terminal 110 
may then respond in kind. In this way, realtime communi 
cation is achieved by the Sending of continuous Streams of 
text data over the data network 150 to and from the Sub 
Scriber terminals. 

FIG. 2 is a block diagram of subscriber terminal 100. The 
subscriber terminal 110 is similarly equipped. As shown in 
FIG. 2, the Subscriber terminal 100 includes a terminal 
controller 202, a speech recognition device 203, a user 
interface 204, a modem 205, a text to speech conversion 
device 206, an outgoing text buffer 207, a storage device 208 
and an incoming text buffer 209. These devices are con 
nected to one another by way of bus 210. The terminal 
controller 202 controls the flow of information along the bus 
210 to each of the devices. 

A speech input device 212 is connected to the terminal 
100 through the speech recognition device 203. The speech 
input device 212 includes, for example, a microphone, 
telephone handset, telephone headset, and the like. The 
Speech input device 212 detects a user's Speech and converts 
it into Speech Signals that are Sent to the Speech recognition 
device 203. 

A speech output device 211 is connected to terminal 100 
through the text to speech conversion device 206. The 
Speech output device 211 includes, for example, Speakers, 
amplifiers, and the like for providing audible output signals. 
Speech Signals Sent from the text to speech conversion 
device 206 are output by the speech output device 211. 

The user interface 204 includes, for example, a keyboard, 
a display, a pointing device, and the like. The user interface 
204 handles user requests by receiving, for example, key 
board entries combined with the actions of a pointing device, 
Such as a computer mouse or trackball, to establish and 
modify the communications process. 

The modem 205 includes any type network interface that 
facilitates the transmission and reception of data from the 
terminal 100 to the data network 150 and vice versa. This 
includes both external and internal modem devices of Vari 
ous baud rates. The modem 205, in a preferred embodiment, 
is intended to be of the generally available type that can be 
purchased in most retail electronicS Stores. However, Spe 
cialized modems are also intended to be within the Spirit and 
Scope of this invention. In alternative embodiments, the 
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4 
modem may be replaced by, for example, a local area 
network card, and the like, that allows the terminal to 
interact as part of a computer network. Any Such device that 
allows for the communication between two or more termi 
nals is intended to be represented by the modem 205. 
The storage device 208 may be any type of storage device 

that provides for the Storage of electronic data. For example, 
the storage device 208 may be a hard disk, floppy disk, 
magnetic tape, writeable CD, Zip disk, and the like. The 
Storage device 208 provides Storage for data and, in 
particular, provides Storage for documenting communica 
tions using the present invention. 
The outgoing and incoming text buffers 207 and 209 may 

be any type of memory device used for the temporary 
storage of information. The text buffers 207 and 209 may be 
a RAM, hard disk, floppy disk, magnetic tape, cache and the 
like. The text buffers 207 and 209 serve to provide a 
temporary Storage of text data received and to be transmitted 
over the data network 150 via modem 205. In this way, a 
continuous Stream of text data may be received from and 
transmitted to the receiving party (either Subscriber terminal 
100 or 110). 
The terminal controller 202 provides the controlling 

activities to Set up communications protocols which, for 
example, include Internet Protocol (IP) addresses of com 
munications parties and the Universal Resource Locator 
(URL) address of the hosting site, to initiate the communi 
cations process. When transmitting text data, the terminal 
controller 202 coordinates the timing Sequence and Signal 
flow from the Speech input at the Speech input device 212, 
through the Speech recognition device 203, the outgoing text 
buffer 207, the storage device 208 if needed, and the modem 
205, to output a text stream to the Internet. When receiving 
text data, the terminal controller 202 coordinates the timing 
sequence and signal flow from the modem 205, through the 
incoming text buffer 209, the text to speech conversion 
device 206 and the speech output device 211. 
The Subscriber terminals 100 and 110 are connected to the 

data network 150 via their modems 205 through Internet 
Service Providers (ISPs) 105 and 115, respectively. The 
subscriber terminals 100 and 110 log onto the data network 
150 by establishing modem connections to their respective 
ISPs 105 and 115 and enabling browsing software such as 
Netscape TM or Microsoft Internet ExplorerTM (generally 
supplied by the particular ISP or obtainable through third 
parties). When logging onto the ISPs 105 and 115, the 
subscriber terminals 100 and 110 are assigned Internet 
Protocol (IP) addresses within the data network 150. Com 
munication with other Subscribers through the data network 
150 is performed using these IP addresses and may include 
a host, as is well known in the art. 
One type of communication generally used by the Sub 

scriber terminals 100 and 110 is chat. In this type of 
communication, the subscriber terminals 100 and 110 log 
onto their respective ISPs 105 and 115, enable their browser 
Software and enter designated chat Sites by either locating 
them using Search engines or entering the site's URL. In 
these chat sites, the Subscriber terminals 100 and 110 are 
provided with a list of other chat participants currently 
logged onto that chat Site. The operators of the Subscriber 
terminals 100 and 110 may type messages to all of the other 
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chat participants or may designate certain ones of the chat 
participants with which to communicate. 

In one embodiment, the Subscriber terminals 100 and 110 
are assumed to be logged onto a Same chat Site. In this chat 
site, the subscriber terminal 100 designates subscriber ter 
minal 110 as the party with whom Speech communication is 
desired. Once the Subscriber terminal 110 is designated, the 
operator of the subscriber terminal 100 initiates communi 
cation with the operator of the subscriber terminal 110 by 
Speaking into the Speech input device 212. The Speech input 
is translated into Speech Signals by the Speech input device 
212. The Speech Signals are then input to the Speech recog 
nition device 203 where they are converted into text data. 
This text data is then sent to the output text buffer 207 via 
bus 210. The terminal controller 202 causes the outgoing 
text buffer 207 to be continuously emptied by transmitting 
the text data stored in the outgoing text buffer 207 to the IP 
address of the Subscriber terminal 110 via the modem 205, 
ISP 105, data network 150 and ISP 115. 
The text data arriving at modem 205 of the subscriber 

terminal 110 is first Stored temporarily in inpcoming text 
buffer 209. From the incoming text buffer 209, the text data 
can be displayed immediately or may be forwarded to the 
text to speech conversion device 206 of subscriber terminal 
110 where the text data is converted into synthesized speech 
output signals using Stored speech pattern data as will be 
described below. The operator of the subscriber terminal 110 
may reply in the same manner, thereby enabling real time 
Speech communication using text data transmission over the 
data network 150. 

FIG.3 is a detailed block diagram of an exemplary Speech 
recognition device 203 of FIG. 2. As shown in FIG. 3, the 
Speech recognition device 203 includes a spectral analysis 
device 301, a word-level matching device 302, a word 
model device 303, a Subword models database 304, and a 
lexicon database 305. 

When the Speech input signals are received by the Speech 
recognition device 203, the spectral analysis device 301 
receives the Speech input Signals and extracts feature vectors 
from them. The feature vectors are input to a word-level 
matching device 302 which compares the feature vectors 
against the word models retrieved by the word model device 
303 to identify the words that make up the speech input 
Signals. 

The word model device 303 retrieves information from 
the Subword model and lexicon databases 304 and 305. The 
word model device 303 includes a listing of phonemes 
(speech Sounds) which are used to identify the words in the 
speech input signals. The subword model database 304 
contains word syllables that are correlated with the pho 
nemes of the word model device 303. The lexicon database 
305 stores a dictionary of recognizable words. 

The word model device 303 identifies the phonemes in the 
Speech input Signals and extracts the corresponding Syllables 
from the Subword model database 304. The syllables are 
then checked against the lexicon data Stored in the lexicon 
database 305. In this way, the syllables that make up the 
various words in the Speech input signals are grouped into 
the recognizable words identified using the lexicon database 
305. The identified words are sent to the outgoing text buffer 
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6 
207. In this way a continuous stream of text data is sent to 
the outgoing text buffer 207 and, in turn, is output to the 
modem 205 and transmitted to the receiving party via the 
data network 150. 

FIG. 4 is a block diagram of the text to speech conversion 
device 206 of FIG. 2. When text data is received through the 
modem 205, it is temporarily stored in the incoming text 
buffer 209. The terminal controller 202 then causes the 
Stored text data to be routed to the text to speech conversion 
device 206. The text to speech controller 402 receives the 
text data through the input/output device 404 and routes the 
text data to the text to speech converter 407. The text to 
speech converter 407 converts the text data into speech 
output signals using Synthesized speech pattern data Stored 
in speech pattern database 406. Such translation of text into 
audio signals using Synthesized speech pattern data is gen 
erally known in the art and the description is therefore 
omitted. These speech output Signals are then output to the 
receiving party through the Speech output device 211. 
The speech pattern database 406 contains a plurality of 

Speech patterns that may be used to provide a Synthesized 
Speech output of the text data. These speech patterns may 
have various characteristics representing different types of 
perSons. For example, one speech pattern may represent an 
adult male and another may represent an adult female. 
Alternatively, a speech pattern of the party actually Sending 
the text data may be Stored in the Speech pattern database 
406 in order to obtain a synthesized speech output simulat 
ing the Sending party's actual voice. 

Another feature of the invention is the ability to document 
the communications being transmitted to and from the 
parties involved in the communication. To enable this 
feature, the operator of the subscriber terminal 100 or 110 
inputs a command through the user interface 204 to enable 
documenting of communications. When this feature is 
enabled, all text data that is either received or Sent is also 
stored in the storage device 208 as a text data file. Thus, 
when the terminal controller 202 determines that text data is 
being received, a copy of the text data is Stored in the Storage 
device 208. Likewise, when the terminal controller deter 
mines that text data is to be transmitted from the outgoing 
text buffer 207, a copy of the text data is also stored in the 
Storage device 208. Depending on the Source of the text data, 
the terminal controller 202 may also cause identifying text 
to be added that identifies the Source of the text data. For 
example, in a communication between Steve and John, the 
terminal controller 202 will add the name "Steve’ before all 
text being transmitted from the outgoing text buffer 207 and 
the name “John” before all text data being received from the 
modem 205. In this way, the operator, “Steve’, may retain a 
transcript of the communication for later reference. 
The received text data may be displayed immediately to 

the operator and not translated to Speech output signals at all. 
In this way, one party may communicate in text only mode 
while the other party may communicate using speech. 

Using the above described Speech-text-transmit System, 
realtime continuous communication over the data network 
150 is realized using existing modem lines. Since text data 
does not require as high a data rate as voice telephony data 
packets, the Speed at which the data must be sent is reduced, 
thereby allowing for conventional modem lines to transmit 
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the data without degradation. Additionally, Since the audio 
output is of a Synthesized speech, anonymity may also be 
preserved. 

FIGS. 5 to 8 are flowcharts of the process described 
above. This process is from the viewpoint of only one 
subscriber terminal 100 or 110. However, the same opera 
tions are performed by both subscriber terminals 100 and 
110. Also, while the flowchart assumes, for simplicity, that 
either text data is being received or Speech data is being 
input, it is recognized that text data may be received and 
Speech data may be input at the same time. Thus, translation 
from text to speech and from Speech to text may be per 
formed concurrently. 

FIG. 5 is a flowchart of the operation of the terminal 
controller 202 when transmitting text data. In step S501, the 
terminal controller 202 determines whether text data is to be 
transmitted by determining if there is text data present in the 
outgoing text buffer 207. If text data is present in the 
outgoing text buffer 207, the terminal controller 202 pro 
ceeds to step S502; otherwise the terminal controller 202 
returns to step S501. In step S502, the terminal controller 
202 determines whether the operator has indicated that the 
conversation should be documented. If the conversation is to 
be documented, the terminal controller 202 goes to Step 
S503; otherwise the terminal controller 202 goes to step 
S504. In step S503, the terminal controller 202 stores a copy 
of the text data in the storage device 208 for later retrieval 
and goes to step S504. 

In step S504, the terminal controller 202 outputs the text 
data from the outgoing text buffer 207 to the modem 205 and 
goes to step S505. The modem 205 transmits the text data to 
the receiving party 110 via the communications links to ISP 
105, data network 150 and ISP 115. In step S505, the 
terminal controller 202 determines if an end condition has 
arisen. This end condition is, for example, the termination of 
the conversation and the like. If the end condition has 
occurred, the terminal controller 202 goes to step S506 and 
ends; otherwise, the terminal controller 202 returns to step 
S501. 

FIG. 6 is a flowchart of the operation of the terminal 
controller 202 when text data is being received via the 
modem 205 and stored in input text buffer 209. In step S601, 
the terminal controller 202 determines if there is text data 
stored in the incoming text data buffer 209. If there is text 
data stored in the incoming text buffer 209, the terminal 
controller 202 goes to step S602; otherwise, the terminal 
controller 202 returns to step S601. In step S602, the 
terminal controller 202 determines whether the operator has 
designated that the conversation is to be documented. If the 
conversation is to be documented, the terminal controller 
202 goes to step S603; otherwise, the terminal controller 202 
goes to step S604. In step S603, the terminal controller 202 
Stores a copy of the text data received by the incoming text 
buffer 209 in the storage device 208 for later retrieval, and 
goes to step S604. 

In step S604, the terminal controller 202 retrieves the text 
data from the input text buffer and either sends it to the text 
to speech conversion device 206 or Simply displays the text, 
depending on the Settings input by the operator. If the 
operator has chosen to only display the incoming text, the 
text data is displayed through the user interface 204. 
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8 
Otherwise, the text data is Sent to the text to Speech 
conversion device 206 for conversion into synthesized 
Speech output Signals. 

Next, in step S605, the terminal controller 202 determines 
whether an end condition has occurred. This end condition 
may be, for example, the termination of the conversation and 
the like. If an end condition has occurred, the terminal 
controller 202 goes to step S606 and ends; otherwise, control 
returns to step S601. 

FIG. 7 is a flowchart showing the operation of the speech 
recognition device 203. In step S701, the speech recognition 
device 203 determines if Speech Signals are being received 
via the Speech input device 212. If Speech Signals are being 
received, control continues to step S702; otherwise, control 
returns to step S701 until speech signals are detected. 

In step S702, the speech recognition device 203 converts 
the Speech Signals that are being received into text data as 
described above. Control then continues to step S703 where 
the Speech recognition device 203 outputs the text data to the 
outgoing text buffer 207. Next, in step S704, the speech 
recognition device 203 determines if an end condition has 
occurred. The end condition may be, for example, the 
termination of the conversation and the like. If an end 
condition has occurred, control goes to step S705 and ends; 
otherwise, control returns to step S701. 

FIG. 8 is a flowchart of the operation of the text to speech 
conversion device 206. When text data is received and 
stored in the incoming text buffer 209, the terminal control 
ler 202 routes the text data to the text to speech conversion 
device 206, if the text to speech function is enabled by the 
user. Then, in step S801, the text to speech controller 402 of 
the text to speech conversion device 206, determines if the 
Speech pattern to be used has been designated by the Sending 
party. This may be determined by analyzing the Signal to 
determine if a header Signal identifying the Speech pattern is 
present. If the Sending party has designated the Speech 
pattern, control jumps to step S804; otherwise, control 
continues to step S802. 

In step S802, the text to speech controller 402 determines 
if the receiving party has designated the Speech pattern to be 
used through the user interface 204. If the receiving 10 party 
has designated the Speech pattern, control jumps to Step 
S804; otherwise, control continues to step S803 where a 
default Speech pattern is used. 

In step S804, the text to speech controller 402 causes the 
text to Speech conversion to be performed by the text to 
Speech converter 407 using the designated Speech pattern. 
Next, in step S805, the text to speech controller 402 outputs 
the output Speech Signals, generated by the text to speech 
converter 407 in step S804, to the speech output device 211. 
Then, in step S806, the text to speech controller 402 deter 
mines if there is more text data that needs to be converted 
into speech. If there is, then control returns to step S801; 
otherwise, control goes to step S807 and ends. 

FIG. 9 shows a third embodiment in which the speech 
recognition device 203 outputs text data in a Selected 
language. In this embodiment, the Speech recognition device 
203 further receives commands through the user interface 
204 indicating the Selected language. The Speech recogni 
tion device 203 further includes a language translator 900. 
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The language translator 900 may be a single device that 
translates text data in one language to text data in multiple 
other Selected languages or may be separate devices that 
translate text data between two selected languages (for 
example, English and Japanese). 

In this embodiment, the speech recognition device 203 
Serves to convert the Speech input Signals into text data of 
the particular language of the Speaker, as described above 
with reference to the first embodiment, and then further 
translates the text data into text data of the Selected lan 
guage. After the Speech input signals are converted into 
recognized word text data, the recognized word text data is 
input to the language translator 900. The language translator 
900 performs language translation by Sending the recog 
nized word text data in the Sending party's language to a 
sentence-level matching device 906 that determines the 
proper output text data Sentence Structure for the identified 
words from the word-level matching device 302. The 
sentence-level matching device 906 retrieves information 
from the grammar database 907 and semantics database 908 
relating to the rules of Sentence Structure and the meaning of 
the identified words in order to place the text data in the 
proper order. The text data is then output to the language 
translation device 901 which translates the recognized sen 
tences into the language of the receiving party. Such lan 
guage translation devices are generally known in the art and 
are described, for example, in U.S. Pat. No. 5,497.319 to 
Chong et al., U.S. Pat. No. 5,640,575 to Maruyama et al. and 
U.S. Pat. No. 5,477,450 to Takeda et al., the disclosures of 
which are hereby incorporated by reference. 

In a fourth embodiment, the Speech recognition device 
203 shown in FIG. 3 converts the speech input signals into 
textual representations of the Speech Signals. In this 
embodiment, the textual representation is not the actual 
words that are part of the Speech input Signals but is rather 
a textual code representing the phonemes detected in the 
Speech input Signals. 

In this embodiment, the phonemes detected from the 
feature vectors are identified using the word model device 
303. The word model device 303 includes a listing of 
phonemes and corresponding textual code representations of 
these phonemes. These textual code representations are then 
output to the outgoing text buffer 207. 

The textual code representations are then transmitted to 
the receiving Subscriber terminal 110 in the manner set forth 
above. The receiving Subscriber terminal 110 would further 
include in the text to speech conversion device 206 a 
phonemes database (not shown) for converting the textual 
code representations into the spoken phonemes. Thus, rather 
than having to determine the actual words in the Speech 
input, only the phonemes are detected and Sent as text data. 
As shown in FIG. 1, the method of this invention is 

preferably implemented on a programmed general purpose 
computer. However, the Speech to text and text to speech 
conversions and transmission can also be implemented on a 
Special purpose computer, a programmed microprocessor or 
microcontroller and peripheral integrated circuit elements, 
an ASIC or other integrated circuit, a hardware electronic or 
logic circuit Such as a discrete element circuit, a program 
mable logic device such as a PLD, PLA, FPGA or PAL, or 
the like. In general, any device on which a finite State 
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machine capable of implementing the flowcharts shown in 
FIGS. 5-8 can be used to implement the speech to text and 
text to speech conversions and transmission of this inven 
tion. 

While this invention has been described with specific 
embodiments thereof, it is evident that many alternatives, 
modifications, and variations will be apparent to those 
skilled in the art. Accordingly, the preferred embodiments of 
the invention as set forth herein are intended to be 
illustrative, not limiting. Various changes may be made 
without departing from the Spirit and Scope of the invention. 
What is claimed is: 
1. A method of providing communication between a first 

party using a first communication device and a Second party 
using a Second communication device over a network, 
comprising: 

generating a first textual representation by the first party 
using the first communication device; 

Sending the first textual representation over the network to 
the Second communication device; 

Selecting a first Speech pattern by the Second party for 
converting the first textual representation into first 
Speech output Signals, and 

converting the first textual representation into first speech 
output signals using the first Selected Speech pattern. 

2. The method of claim 1, wherein the first selected 
Speech pattern is Selected from a plurality of Speech patterns 
of different types of SpeakerS Stored in the Second commu 
nication device. 

3. The method of claim 1, wherein generating the first 
textual representation includes: 

receiving, in the first communication device, first speech 
input from the first party; and 

converting the first Speech input into the first textual 
representation. 

4. The method of claim 3, further comprising: 
receiving, by the first party, a Second textual representa 

tion Sent from the Second party over the network, and 
converting the Second textual representation into Second 

Speech output Signals. 
5. The method of claim 4, wherein communication 

between the first party and the Second party is Substantially 
continuous real time communication. 

6. The method of claim 4, further comprising Storing at 
least one of the first textual representation and the Second 
textual representation in a storage device for Subsequent 
retrieval. 

7. The method of claim 4, wherein the step of converting 
the Second textual representation includes determining a 
Second speech pattern to use for outputting the Second 
Speech output Signals. 

8. The method of claim 3, wherein the step of converting 
the first Speech input Signals includes determining phonemes 
included in the first Speech input signals and converting the 
phonemes into at least one of textual words and textual 
codes. 

9. The method of claim 3, wherein the step of converting 
the first Speech input signals includes determining textual 
words included in the first speech input Signals and arrang 
ing the textual words into textual Sentences using grammar 
and Semantic information for a first language. 
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10. The method of claim 9, wherein the step of converting 
the first speech input signals further includes translating the 
textual words of the first language into textual words of a 
Second language. 

11. The method of claim 9, wherein communication 
between the first party and the Second part is Substantially 
continuous real time communication. 

12. The method of claim 1, wherein Selecting a speech 
pattern further comprises, prior to the first Speech pattern 
being Selected by the Second party, determining if another 
Speech pattern has been designated by the first party, and if 
the first party has not designated another Speech pattern, then 
Selecting the first Speech pattern Selected by the Second 
party. 

13. A communication apparatus that provides communi 
cation between a first party and a Second party over a 
network, comprising: 

an incoming text buffer that receives a first textual rep 
resentation from the first party over the network; 

a text-to-speech conversion device that converts the first 
textual representation into first Speech output Signals, 
wherein the text-to-speech conversion device uses a 
first Speech pattern for Outputting the first Speech output 
Signals, and wherein the first Speech pattern is Selected 
by the Second party; and 

a speech output device that outputs the first speech output 
Signals. 

14. The communication apparatus of claim 13, wherein 
the first speech pattern is Selected from a plurality of Speech 
patterns Stored in the communication apparatus. 

15. The communication apparatus of claim 13, further 
comprising: 

1O 

15 

25 

12 
a speech input device that receives Speech input from the 

Second party and converts the Speech input into Speech 
input Signals; 

a Speech-to-text device that converts the Speech input 
Signals into a Second textual representation of the 
Speech input signals, and 

a communications interface that Sends the Second textual 
representation over the network to the first party. 

16. The communication apparatus of claim 15, further 
comprising a Storage device for Storing at least one of the 
first textual representation and the Second textual represen 
tation for Subsequent retrieval. 

17. The communication apparatus of claim 15, wherein 
the communication apparatus provides Substantially con 
tinuous real time communication between the first party and 
the Second party. 

18. The communication apparatus of claim 15, wherein 
the Speech-to-text device determines phonemes included in 
the Speech input Signals and converts the phonemes into at 
least one of textual words and textual codes. 

19. The communication apparatus of claim 15, wherein 
the Speech-to-text device determines the textual words 
included in the Speech input Signals and arranges the textual 
words into textual Sentences using grammar and Semantic 
information for a first language. 

20. The communication apparatus of claim 19, wherein 
the Speech-to-text device translates the textual words of the 
first language into textual words of a Second language. 
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